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ABSTRACT

Performance analysis results are limited to of network level, because network level transmission parameters are used for performance measure and
analysis of network design, construction and operation on underwater MANET, With this way of performance analysis based on network level, it is not
easy to analyze transmission performance related with user level transmission quality. In this paper, transmission performance focused on application traffic
be required by user is investigated to supplement weakness of performance analysis based on network level. Voice traffic, which is expected to be
increasingly used on underwater MANET, is considered as application service, Some conditions for underwater MANET will be proposed to support
transmission quality, MOS, CCR and EED, etc.. A computer simulation based on NS-2 is used for performance measure, voice traffic is generated as VoIP
specification.
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Parameters Values
1x1, 2x2, 3x3, 5x5, 6.7x6.7
Unit : 100nx100n[m’]
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