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ABSTRACT

SIP(Session Initiation Protocol) has become an universal standard for multimedia communications for both wired and wireless networks
since it has been adopted as a standard protocol for IMS platform in 3GPP standardization organization at November 2000. In this paper, we
design and implement a SIP-based softphone client program which provides telephony service between internet users and a call center
equipped with VolP gateway. A softphone client based on PC-to-phone connection should guarantee to provide interoperability with various
VoIP gateways and higher portability to be able to operate on different PC environments. The softphone client program in this paper has been
developed with SIP 2.0 standard protocol to support interoperability and with JAIN SIP and JMF package to achieve higher portability.
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Table 1. SIP Methods
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NOTIFY 52999 o An 4y
MESSAGE W) A] X (Instant Message) W& A4
PUBLISH Aol e A E &
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Table 2. SIP Response Codes
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