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A study for maximum channelizing by FIR filter in voice band
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ABSTRACT

Users are offered by the multimedia service of various information on current information-oriented society. The digitize became essential
thet process of various data is not to selected. Also, Filter technology is required to use the lacking frequency resources efficiently. This paper

designs FIR digital band-pass filter of the voice band by narrow band pass filter and verify the characteristics of filter to use by the DSP
practice SET.
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Fig. 3.2 Frequency character and transfer function
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TR =4
Audio Codec 8k, 16k Sample, 13-bit Liner PCM
AD Converter 120Ksps, 8Channel, 12bit
DA Converter 120K sps, 4Channel, 12bit
Step Moter Step Moter Control Port
Graphic LCD 128 dot x 64 dot black and white
User LED 8 User LED
Push Button Switch 4 Push Button Switch
Dip Switch 4 Dip Switch

. - 16Bit Data/Address, 1 Chip Select

CPU Expansion Bus Port | . q/Wiite, 1 Output Enable
Digital [JO 8 Bit Input / 8Bit Output
PWM Port 4 PWM Output Port
J-TAG J-TAG Interface
Reset switch Push Button Reset Switch
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