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AME3HE T WP vl Ho A8 A
Egk Ho| gt HE DSPY H¢ Heds
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mono input signal

direction (6.¢)
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left filter
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&t o] WHE 297 Y Tl A8k
o). o] Wb HE] Ad A0l L=
Ao QY AN HAYS AXA HH, oY
AAsHs TP BT 5 e A
A ERYE o718 7 71wl o]ef gt
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A7) A Aze 3, & nHA AF]A
A 9Z A7 ¢ AzlE veRdth 297}
Aoz g0 Yl S 7HEsk,
ct = cfandcf = ¢ ®
o] Atk a3 at T FALSHA A= nfiA &
A%} L EF ] Aloje] AEgrolth. ek n
WA 2379k @ 2% Aol AR E di=dit 4
= ®@shd o33 2k

1 eflm\_'A
C=c{ ..
{A 4 ] ©)

Crosstalk | A7} $lol Fojd 4E Co o
GrE Folx7] wiiEdl, 8 C HA THA
2} A 71-5-%2] B]QI condition number[41]E
A8 ZM crosstalk AA7]2) eHdAS 2
2 % girk gy

A A

A= T + Py P integer

2}
A 2L crosstalk A)A7]7F HH 1 EAE
7}A = vk

| S B B8]

A= q-% q : integer (11)

Q1 9o+ condition number’} 713 2 k&
A B2 crosstalk A|A7 |2 2T S
7HAA Bk oA ek, ni A A9 A9} 9%
I QEZALY H2AE ALY GAY (420)
dY A5 gkapge] YgelQl -2l crosstalk
AA BEH) N J3) sEolz 290A YPAs
o] 77t H=3 AA AAZAQ AN 5
o] A "ol & Qo). 53], ¥ Ful tiY
ol 2uFA e} & Az FEAbe} AdHglol
T4 (103 724 (1)l J8l BE C7} singular
A= A7 ST

theta {degres]

B ® 5 B8 3

=

frequency [Hz]

Qg 8) Am#9| Ax|ol WE condition number

o %4

F 2uF ¢} A ARA} 45 AA 2907
o] fx1 ¢k AAAF17] AJA T 0] AT A}
M2l FAAX N, (x,+6), (x,-0) 2] Al
Ag wWE 7HEte] FAA0E 7 oAl
23A A9 7HE B A9AY YA

o ol e 9 5 gk

sinf = 5o =, {best loudspeaker positions) (12)
sinf = A A (worstloudspeaker positions )
dry 035 ' (13)

2 ¢ 5 Utk ol stereo—dipole[42]°] 3kHz
o]de] gigdellA wilg- o] 3 54 Bl
£ RS QFHE Aolt e TR 2 5
o] 2317 o] WES H We T
o4 T 5L Holi= RS BT

—

[e]
AR

). WEbA] stereo—dipole] 735 ¥ Fub

—740—



2004\ 68 HX}FE}X M31A Mok -

g & B

8

©

Magizade Response (45)
=

0
Frequancy (kH2)

(3% 9) Crosstalk M77|2| dsH|x : (a) Am7 U Al
Metsta £ IO AT AN 217t 7|Z0| b

—=2aT. T (R w—

o "Ejof glojA HE 9 ill—conditioned
TAE 54 T3 g9eA H4 2E ASE
T8 5= QA BHETH43). B3] 2] L AF A
EoplA = o8 $ ol 2 54 FI el
Al w2 o] So] BAYEHA Hlof AT A ] A
|50] X7 HAY ARAY AZ Fof
& T Bk crosstalk AA L} FA A =
| &2 BA7F sk, 5% 329 o 2

HE 7dstA 94 54 T gy, 5 Zﬂ
F3H<500H2) o 57 T3k th oA wli-+-

o] So| dhAlstA "tk o] 9y Y At °VE§
3 FAE shashy] §8k W o] regularization
olt}. o] Whie HA Y AFE 78 0 71&
of] @ xPikE- H|§ 84 (cost function)oll EHA]
A s B Haslshe 23 g eateg &
1‘43—]94 (?:]_E'_z}ﬁ._ 3]-7}“ z]/\ﬂfﬂ-o_gbq Z—]\ﬂ—é‘]—"
vsﬂgo] smgular?SHZ]L A& vz 5= Wolrt

o] wf Hl-gere vt ol F ot

N
o.?: il
N |

O
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