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Recently, speaker localizing estimation technique has been rising in teleconference systems, In this paper, it was
described to be able to enhance the speech quality through microphone array, and received the only signal of speaker,
Unfortunately, as it using estimated the signal in advance, it is not matched in a real acoustic environment so it
has poor performance, In this paper is proposed for Adaptive Matched Filter Microphone Array that estimated acoustic
room environment from the received the signal and study of the efficiency through simulations,
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ASK subject classification: Acoustic communication (6,4)
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Fig. 2. Block diagram of the proposed approach.
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