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Abstract

The speech includes various kinds of information

. language information, speaker’'s

information, affectivity, hygienic condition, utterance environment etc. when a person
communicates with others. All technologies to utilize in real life processing this speech
are called the speech technology. The speech technology contains speaker’s information
that among them and it includes a speech which is known as a speaker recognition.
DTW(Dynamic Time Warping) is the speaker recognition technology that seeks the
pattern of standard speech signal and the similarity degree in an inputted speech signal

using dynamic programming.

In this study, using TMS320C32 DSP processor, we are to embody this DTW and to

construct a security system.
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5. 48

DTW &z &FE& o] 8¢ Az #F oldl
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28 5 A AL E AHE JtAEd oA
& Fdo) AiFHoE ALHAME I ATl "ol
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o, A B AFE B3 EAY =3 G35
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ALAHA AdFsojA ok HAZ oAzl

Ha B dyal FEHAZ System2 d@4

%) Distance*10/frame < 39(&7o) uwa z=F
¥ 7)o 2 Normalizationd} &t}

6) External memory(SRAM-In board) size : 64k
word(=512KB)
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