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Speaker Verification System Based on HMM Robust to Noise Environments
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Intra—speaker variation, noise environments, and mismatch between training and test conditions are the
major reasons for the speaker verification system unable to use it practically, In this study, we propose
robust end—point detection algorithm, noise cancelling with the microphone property compensation
technique, and inter—speaker discriminate technique by weighting cepstrum for robust speaker verification
system, Simulation results show that the average speaker verification rate is improved in the rate of 17.65%
with proposed end—point detection algorithm using LPC residue and is irmproved in the rate of 36,93%
with proposed noise cancelling and microphone property compensation algorithm, The proposed weighting
function for discriminating inter—speaker variations also improves the average speaker verification rate
in the rate of 6 515%,
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ASK subject classification: Speech signal processing (2.5)

LME

siaeel e whAdsiatel SAol| WEH /A S o8
slol th2 sirjelel WEd Bo 2AYS YISk A
olc}, Yty oz ofegh Mol $4E <88t
HATXL Q172 (jwwee@unitel.co.kr)

139-701 MSA| =7 FAF 4471
HE2CHER MASASER

(Xz} 02-940-5136. HA: 02-940-5467)

rAglabel AeZ2 2Ylddl LPC (Linear Predictive
Coefficient)} BFA}2A39] 7|42 Y E5h= Pitchl}
Formant 50| glo0] FHHOE Syl AHOBE
Aoy} ogf B3 Z-& AEo] EAZICH1], 128
U o|2igt SRk o 2 = whAYsLa) 2441 9] Blo] S 4]
ZH3L2] £3}AL 2R F-o0 2 B3A 2
oJ8f qlAl&o| A3 AstEcHal. cheha] & HtollA
B BRI 2”0 5 A= a9k B431


mailto:jwwee@unitel.co.kr

70 SSYRAX) H203 A7 (2001)

AL oS AtABt AR A A7) 29148S Fol 1L,
TS8R 2P% A getujel§ 319 AN
o) °]88 + A=F ASo|ds3ict

2 =29 FALS oS3 2 DA = 374 8l
Al&slojx o] de#3t flof dia) s 2d F,
MM Ad3he 5873 2 22 92
g, 2AA % olo|2SY A7, LrC ALEH
7 Aol ofgt szt WY g 19 Vet &
T, VIS 48 87 4 7189 TAaT Ak 34
9 A% Wt ANE HAFI YR VA M=
ZE B 2E gt 7)edit

I, $IXFQ! AARIOM ] s Rivt 291

SRR AlAdo A s S UM o] QFAUd &
A F, WSOl SEYF A" HellA BAs=
s, ol Foll 3 Alage] 5ol 2A AstEn A
WM o2 sAlA o] B e o] HEelEot o
A&)el 7 o2 Qld Q)ago] 2 X3HETHal

ol& £Fdt AEER 2A ohE Al 713 BeiR2
o & Ao

2.1 94X} Xpe WSy | vz

A} AH4le) Wide 3A} 2T} EgAloh 1FA
LA ot e, A, A% Sol MEstAY &
717 ERES o, 2ATH A7 M W), o} E=
A9 7Y 2o 37 o Sofl A% 93¢ B3k AR
A Al2ge] dAe WE) Aoyt FFE it

2 drolAE ol Hakacle 2R 7t 3R}
2l &4 elulel & 2ash] sl sl Y
o 2A% LPC AXEHY 7HFAE A-E33

2.2. FHESY T4 UEAXZRE| 39
YY) H87Hed TAEe AAE: dEd 87
2 2L 28 ol oyt &, Aol 2K, LA
g 53 28 TS0l Bol EAPBK: 2o 7919
TE REETES) BESS0) A EAsh: R
n2sloqof gt ofd 7S S3) AP AN e
o] BRI = ATt 2788 HolA 51 §3] o]
= 84 323 22 A2 2A = UA Aol
Tpha] & dFolM e o B7S st 7]Ee

J8 1, SXEIA AN M| B5H5E 28
Fig. 1. The reascn of performance reduction on speaker
verification system,

AP E i} FRAE 55 o1 TS deE
< Ayl A2 2385 AS AdsAd. B3
AEAA G252 Tl Bt 71 gRiEel Al Ag
& dASA

23, o2 BY ¥ Hid 45

SR A AR 29 Sl ARE AAYT 5
FALHOE AFABL & B 1T B4 o7t ¢l
7l W Ee] £ A4EE Mol St ARl YEY
38 7o A3 B A% olaldt ol 33| 2ot
7] 95 ek,

2, 499 B} WZYIE 7o Yole) Ak
WO B55t A0 RES AT T 0| F YD
A g ) B U ALY R BRlstAlE gheth o
2 ol#3t - vol st & SAYHA| 2]t A
2Erlmot e o) Dge S0 G 2 sny
ol A Hfolof AT BE 2ANLE AL U
Qlo] HrHs),

3 QoA oleid AYE Aol it BARS 915}
SAWAE B nolANN LTRSS Aksigod)
olg Algdolastirt,

2 12 ALY M-S Al 2%
231 BHY Aol

I, Rorel= TSEH) B 4
T2 J1Y

3. YSHPA 2UN S/FE YT
Qurze e Y29 B zade] A2
BUALS ol §3lo] Yt ujAZ-Fol THE 24



g I R R LS b - B e i 2o e S S E R K
o} olE EAREY FAYYL HA ALY Q14
2 A AL

ety £ =M EAA e YRt BES
E2 A8 LPC ZHAALE (residue) Y &2 o] &3l T3
25 Y3t

LPC HAX R (residue)d LPCE-Afof o]3t ZojAjE
o2 duryog & uf k&g YR LPC $49)
EA4 olgfgt di& ek S/ EAste v|AT &
Aot g Suiste AoE $49 TRt B4A
SAHLR FHolek= 7Ho)A v RETHe].

2 =M FUEol i ERS B EE 74
B EHFES 3 S 22 AHE AL AR A2
o2 2dY FRol A HEnxed 53 EAFE
saict,

step 1) ¥ Y24 oHR Zg¢ol LPC HAEYH o©
£ &%

step 2) € 29249 oA T ) LPC YAEH oV
£ ol&sle Y A 71 dEeAE
Lids)
elm) = s(n) — gaﬁo’s(n— )

step3) A TN BE e (& NBL UHEH ()
oz oA
S = edn)

step 4) A2 LA T(mol et 23 Tagle)
LPC HAER o9& Rt}

step 5) 281%] T Y| LPC FAAEY P 083k
AZE AU 5(n) A P ol 22N E 7
e,
ex(m = sm) - oS-

step 6 9 PO LE o (S AZL YBEA F(n)
o2 oz,

() = e<(n)

oj7iAl, dE Sl F4 27] 32 S BT
et 7Hgsk gt o] #E vl &g 7ol 228 LPC Al

ZSEIN AL HMMZ|E SIX| Ol AAR0) BB HF 71

€ 53 oY 549 A Fhe et vind
5748 7 3R Feele € d¥S A5
Bt S0l EAshe 7] Aol vl te s
A58 LeC Als=o] A8 et oS35 WEA7)A
et o2 AYE 28] RS REN A s B
T vl ATe BAShe vl AlL]e
A7) A0 Q3 HAE F2 e A 0es
THEA Hal A4l SRAE o S et 713
Al 2.

T 28 204 a7 dHE B34
AP} Y& BHFES A3 2 =2olA Adst
T Q= LPC A4 E (residue) T 0|83 HE-3442) o
L sAYUAsi Yehi ik

& =2Me olefRt B Y B7tel F el 23 vl
S S A 3 2y Y FolvAjek A}
&2 F9 ASENA AU PR E FES T
3t

1% 82 & Aol Addt 2d5E WY =

OO T—
€0 are gl de oy

(a) W YHPZE UY (“PEFIN ")
(a) Original input utterance {“Anyeonghaseyo™)

R g gy gt g
3

(b) HEE 24 (“ISHIR”)
{b) Manufactured speech (“Anyeonghaseyo”)

03 2. f UMSM 0| QU-72ta} LPC residuc® O|23510 Hy
B U4SY

Fig. 2. Original input utlerance and manufactured speech
using LPC residue.

R :
_—%@J 0 B Ea |
T LPC BEEE ‘?T
|

1

L

J8 3. Hoks 28 =& ¥neEe s
Fig. 3. Block-diagram of the proposed end-point detect
algorithm,




72 YISTUNX| H0A Al7E (2001)

3.2. S U |38 By

2 oAl Al Al A oA YAEY By X
¥ (CMS: Cepstral Mean Subtraction)& ©|-858%3 g
=gl 2 F32 AA A ¥4 FeAgieR
F2 AN E= Fube T By of HAEY B
el B QAR dolA HAshe AlAd Rt
R Ho] Hajztdol ot AYHn FSAAA &
B3k SAERICIA = 7HQ1Y E4dateta]ele] &4o]

Lt gj=o] v Hof ek E44ES HHUHT.

oS A (02 PAEY B A 3 549 7

2EHE Uehd Ao}

ot Uola] 7719 AAERE BIHAL, w = A2
Y e AAEYY 7HEAE Lehd Rolth,

E, A9 290 A 2WelAE 8717} ol g3k
Alga el sloje] 402 Sixte) shymEo] AAE
o} 2t Q4] HIAES] B4e olof ThE Wl B
419} AoIat mfo] 2.5 o] §:3ko] o] Zoja £ 9l7] &
o Bhate) B MR B AlolE M2 OE A2
o|uf ufo] 2] EAE I AT B0 BAL A4
s 7ol Whe Fas A7 Ho

et & AT E B 40 s o
Qibslolel S olgsiol S L el Y
8 The 4 ()1} Zo] 74T 0|8 BT B
=7 sjebr|E g 225 2A ojol 2 E49) Wolo]
Flg SREe YRS sech

¢

.19,03“.
70

oN

sty = G- p cldd) sti+7) 2)

A714, cl(DE n WA stolA ) B30l 4 FE8
AXERHY ;i ArE gnlehn] G oS3t

() & n A ule]R 5402 F4E S4I413E 9
ojgith. &, opo] 3.9 E4E AT = A E5T1]
HLEHS o]g3te] Yoo ABFAE WYstREN
o] TH3E S0l 999 npolazRE UdHE S
2 JHE 298 7R eA "o

mEbA, B =Rl Ak 259 AAe] B4
e FAEE oE 28 49 2.

spesch

4
18 Micel . LPC Cepstrum
Cepstrum * =% —_\
281 Mic2! \J\ LPC Cepstrum )
Cepstrum py =&

L] L]
* L] .
* . [ ]
nt Mic2l @ LPC Cepstrum /

Cepstrum g

J8 4. 00|3EY HAS of# UMK 74
Fig. 4. Block-diagram of preprocessing for mic, characteristic
compensation.

2 ‘_‘,°ﬂ"1“ ol opo| 2 B A A2l & B3 &
H SR ED 29l Y& ol 83t §‘J-XH =g
= 2!“8}7“ Sz o|g A Fo2H AjAg ol ato] 29

=40 e Skl Zae] eI

3.3. g LPC BAEY J1Fx|of 28t xRt ¥
EE R

sRpele) Al AEle Wgsiatel 4 sielujelo T
siape] E3) sfetuleizte] A2lE o] o3 42lol8-g
75@6}# Ro|lE2 FAHT tiike SAHE9] YRl

£ 932 = 33 £ mlejugo st &

WH A8 & 54 oalue o 350] 283t}
aEy, ekl Y= melEs o} gsls LPC AAEY
9] 749 Mel-# £ E 3oL} PLPS} 22 T}E £%) njetu)
Ejofl vlaf w3 32} A7fde] el FRE 7=
SHAE AP AT @ 0422 9 AHGS Holn g
o}, o] LPC AAEH T e A wdo| 2| 23| @
At e EA 294 glojA] BEAY S
a2 fREHA) Ze AL SIS 22 gt |
B BQlglol E78kE ShAlSh B Ajolg Hole
o 2 giclo] ik, w3t 2 oly FAE bl 1 2}
0)7} o9 A LFeRU o] = 9.42r8-0) §1910] 7| =
g},

E3t LPC ALEZO|U Mel AAEZ Q] A|7HF QL ¥
B2 Yok 54 ojetu|g 2 det AAEAS o) §
A gt ol AR S vehlls saelu
ojokoll 9%t B2kl WHmd ol H AT 452 Roln
BRI 2 AL RS FoFY ot o) gh neju)
B9 848 AuUalA] 2zsts 48 ARl o3t
580 o] B8kl A Ao 452 A




2lo] B7IE et

Tebd B =B LPC AAEYT TS JErd
of ot BAhRle) BHE WS B setlso)
AME 71BN E BE8HEA HAT WS A
Ak Z, 5 Qekael Sl diat skt
Aele) S YELbE Mo} PREe dejE
A7 fo2n Bxe) WEa g PAsln 5 o
Ae) Wo)S AHa| £8=E s,

T 2 ATF)H AT LRC AP 1R @
48 e Aol

_ _os(d
w(i) = P (3)

A =k S () — mf)

A =+ gw — m{)? @

4 @olAl hehd vlok 2ol (9 3 BRY
SYTZERS] A Tl that ¢ A Aol sldel
£ BB B ARISHT ()9 A QA
BHAEY FERELORE AL ; WA Adko]
She SAME0) BAE oulai

5, 49l SATIRNA Yrbael 8182 Lo
2EFS] A4 vl it SHBR ] L AL
o} 248 W) w7k 2 1 B30 RS BB
7A3A2 28317 S o) WAl ek st
2] Zokso] thet AR Rigjel UgsEE Afeld
HEAS B Wi

thg 19 55 4 B8 Sl ASAE B
2holele] X8z ek Rolc,

2SO AEE JHEA
9
8
- \

! . f\ / ——speaker]

¢ ‘\ -a-speaker?
i 'y /X&\/\/)/ \/k - speaker3
5, ‘ \ W/ \’"‘*/ -~ speakerd
4 or
= ~a—5pEakerd)

3 A \/\/fy'[ ’1//1 +speaker6

; ﬁ-;é‘ -~ speaker?

: A Y, - speakerd)

[ 3 5 : \.

£ \.—.N
0 AP
1234567891011 2131KI1516 17121920
Order

% 5. 2 BXIQ |ITIt0(ESl x4 MO J1ER|
Fig. 5. The proposed personal weighting of feature parameter.

SRER0 ZAURH HMMT| SIRE &2F A2l gt 9 73

Iv. 4 873 ¥ 3%

2 =7 A9 ¥ DBe By 4 50 o3
7k 38y WAE 34 ("B e) 28 38t 96
o] IR} world model S FA3HSIT),

HlAEA o AAIRHE ] A8 7Hed 4eg7E 9
Sto] chepet 8 (Al el 7o, 24 474, 4A
g 37, PCE oA AR TAE B3 AYEHA
oo C++Z ARHE A EF0EE TH FHHLR %
&4 35l

B =2oMe AR A4 ARk HolRe
Atste] 2 Spabd 33]9) WS o2 3R 2 S A
A3E, BE g LnEES F8 I 2esT 2
9% A4

1Y 622 =29 dIA 389 3 AlAge)
A PSS YRR 27 7ol M B gFelA A
H SRR A28 AEdlolEE ANt

"ih?.l .IL“é!
i

Eﬁlﬂﬂ %
OIS ax sy

) VLS s8

izas

UNRB(SYA B i

JO8 6. SAjERIAIAY 2YT
Fig. 6. Block-diagram of the speaker verification system,

anshJahZcoexZWaawlmzamsm sl S RAGUD
img Domain} 138 (3

: = 0,45551 ]
aakem‘MsmBInvcwordSSﬂ tSecni uv Madium leve!

S s 22 550
1824) " 0.476871(0. 1 S 3ietes

38 7. SXEIANAY] AlEYO[E
Fig. 7. The simulator of speaker verification system,



74 ERASYRSIX] X0 HI7E (2001)

Aol AR 34 Hlofele] A

A)ZL) zo)
Po‘T
1E O 5}

e 11,025 kHz,

0] 2 240221 E (point) 2] 243 4523t 2 H Q) (frame) 2

B3z 801?_5‘4‘

ol (shift)stod 344 (Hamming

Windows)}2 H% & 2039 LPC PYAEHS F3l¢ic.

ok 18|52 2= S-state left—to—right HMME ©]|

.9.5].01_1_
wriES Hgsigct

The # 104 = At £ 2
Yo} GEAES AHget 290l

QAT B ES D2flo] B v o]

27195 el o

24 32

Z &2

E 1. 42K 28 & 7|99 45 I}
Tatle 1. Performance of the proposed end-point detection

method.
OlliXI2l Hidkt@S | LPC residued Of281
A22 B =8 8 A
Utterance 253/340 295/340
Huo (%) 69.11 86.76

& 2. §218t no|asy Loe|s0l it HsEA
Table 2. Performance analysis for the proposed mic. adaptation algorithm.

vl s gich
deEn 2

=

TET

O Qln
ad

wkafel uhy

a13) %sz 2q) Wgofi 2ot A

E

o2} o] W

2 ¥ 8t
2 9} 89.11%9) HEEZ "ojut LPC HRAITE
°1%¥°f1 HEEH ST dal B 5 A=

86,76%°] FEYTE Ho|22 oF 17.65% FAES &

At & =Ee FYFSof ARG 340719 34 HlolH

LA HE U 39 OB AYSRYEY 2 S E
et sloln] B ASTHUGH|7} oF 7,62 dBol 2.

AdbolE 58] e Ehey] Wele 24 1.863 dB, 3
o 17,254 dB7})

gzt 9k

o F 204 = Ak vhol A HAS Z o gt 4
%7hg Vshigich

E oA = u}o]a 12 853t & 31531 njolg ¢
9 ohE 34 mol 22 A HHS & AP ASAA

% vlolat MAF 71N AMESHA] RS BTt Ak

Mc 24 UIRIEZ HISIN S AP
21 MM MIM2 MIM3 M1M4
R | FA FA FA FA FR FA
A 21150 | 3300 | 84150 5/300 56/150 8/300 120/150 0/300
DIALE (%) 840 | 990 | 440 98.33 637 | 9733 200 100.0
AR wWAlo] Mc 4 Yinriss M A2
o MM . MM MIM3 M4
- FR FA FR FA FR FA FR FA
R 17150 | 4300 | 177150 | 3/300 12/150 13/300 15/150 2/300
OIS (%) 887 98,67 837 990 920 95,66 900 90.33
3 A JEEAI0) et SIRIE0) HSEA
Table 3. Performance analysis of the speaker verification using the proposed weight.
3} No weighting Cepstral weighting Proposed weighting
FR FA R T FA =) " FA
usert 1740 0/300 1/40 0/300 1/40 0/300
user2 40/100 "~ 3/300 10/100 3/300 12/100 430
O user3 140 | 0/300 0/40 ' 0/300 0/40 0/300
userd 3/60 12/300 14/60 0/300 0/60 1/300
w5 0/50 1/300 /50 © 0/300 o5 | 080
ser6 9/60 0/300 8/60 " 9/300 6/60 © 17300
user? 6/70 0/300 570 '0/300 270 0/300
Lser8 19/100 0/300 23/100 0/300 17/100 0/300
werd | 11/60 14/300 42/60 0/300 10/60 8/300
T serd 2/80 1/300 /80 0/300 1/80 0/300
A 92/660 31/3000 105/660 12/3000 49/660 14/3000
% 13939 1033 15909 04 7.424 0.466
QIME (%) 86,061 98.967 84.001 %96 w576 | 99534




78S AAgEEE 1 oy & A S B

uto|Z B4} 41l EE 85 Y2 AL 2 U5
ofl thal B 52.92%2] AA3] ¥ A& AAAR: A
ol thal 98.66%2] HEEE KoL} Akt uto| 2 A
GEEL A3 Aol E 22 21FA] 89.85%9) Q14
&7} 98,16%0] APJA}H A Re) tigt HB =g 2t

the B 3 A 75l it s Bt
£ AN 7HEAIE FA @2 B9k 24 9490A
E3) HgEE= ARITFH (sinusoida) AL EFH 7153
£ HE% 49 tis) A B & =FollA A¢t
g gz ie] wstol] A% HA 7HEAE 343t
7ot v mEAE

£ 304 BojFRo] 7hgAE A8 2 LRC AL
EQ| 9 EIR1F0l thst Hal4l&<] 86,061%0) 1
A A ik AR-g0] 98 967%S LIERH T, AFqlmt el
(sinusoida) AERY 715418 M43 3¢ 29 954
thet B Q1280 84,091%0] 3. o AR} Tt A
$80] 99,6%% EQ) ¥Hd, AUt siAbE 7152 & A&
T A 29l AFo] Bt 92.58%, AR} ARge]
99.53%2 FAHES IS

V. ZE2 9 ¥

2 ATolAe 2AH BN dofuks SR ER) 2.F
5 Haosh S &7 I RN oo 4ldt 3}
7 & AladE A AAE) S AGsig. a7
o @70l obd AAl B7olM HER 4 wlole 9]
+ 2zhf Holut B39 IRV pfsiaeng i)
Y Fe Ao P EE ol $A4 Wt

2 @F M= 2H 87 9 31 &l A AR e
2 e A B 35 ¢uEE s, &
5 8733 Q4 B39 2R dolvke 4% A3tE
27] 18 2% AlA L ulola 54 BA7YEE M5t
il

E3}, AN HEH S B2 §0]7] Hdto AP
HHdSg e 2e o Wsto) 2AT 7R 71 S ARLs)
ATt

TS0l ZRIEH HMMISE BIR} 101 AJARIN B AT 75

AR LI AN S AN 4T
3 S 7PN SRR woloh Aol el
ML U FETH BRI AlAEIT 2 e 4
Q1%7140] ARl A7) SAshel uTh B A7}
A solol ¥ Aol

o U} si2je) 84¢ &4 0= RHsld 37
2EEE B0 FHIY 5 A 4 54 stalg|
oet @77 o] RolAlekd 3R AT U3 3fe]
ge £gol et Azt

el 2

o] =& 2001 FEef gt AfEadte] Ao
o3l AFEAE.

1Y

M

1, J, M, Naik, “Speaker verilicalion: a lurorial,” /EEE
Communication Magazine, January 1990,

2, S, F, Boll, “Suppression of acouslic noise in speech using
speclral subtraction,” fEEE, ASSP-27, no, 2, 1979,

3. A E. Rosenberg and F. K Soong, “Recent research in
automatic speaker recognition,” Advances in Spsech Signat
Processing, pp. 701-738, 1992,

4, R M, Stern, F-H Liu, Y, Ohshima, T. M. Sullival and A,
Acero, “Multiple approaches to robust speech recognition,”
Sth Darpa Workshop on Speech and Natural Language,
Arden Conf, Center, Harriman, N, Y, Feb, 1992,

5. M, Omologo, M, Malassoni, P, Svaizer and D, Giuliani,
“Microphone array based speech recognilion with differenl
lalker~array posilions,” Proc. ICASSPI7, pp. 227230, 1997,

6. J. He, L, Liu and G, Palm, “On the use of residual cepstrum
in speech recognition,” Speech Communications, Vo,
17(1-2), pp. 5-8, 1995,

7. TNIE, OlXi3|, 2ES, “BIRL #Q AARG 98t H3N oY
AL A SEX) 2ol gHet H," B SYUSX] H19H
M52, pp. 20-26, 7, 2000,

XKt 2%

o9 A 2 (Jinwoo Wee)
BIZSYSIX| 1PR0H AsE X

7} M 3 (Chul-Ho Kang)
I SHEIX MO HuS HE



