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[. CX|g =Xz

tix]er Al & 2] (digital signal processing)& F
o]zl A% (signal) & d#4] £2E(numbers) Ex
7135 (symbols)& AHE-slte Wbz, 218 (& &
25 £ 755)E A 2obE Tt ol9
722 YA AlaAEe] 5L Foldl AEE ¥4
s7le =& Aslr]d 2ol Z93e FEHZ w
A, Fo97 Az £A stepuelE(character-
istic parameters)2] FAeojel & 4 ik A&
Az Reole At 2587 Fehy £x22 WAH
]2 gtony E Fof] o /P ¢k vk o
gA43} =Ho] A Aol oxg A3 e ¥
A ZA A€ telephony, radar$} sonar, £4
g s} AzAe, o8 A 5 5 B Hop &
FHog g4HR T 9loem SEEete doRE
A Foid Aoz 7l

txet AszAEE 1960 FHbd A3z AE]
(signal processing) ok el *Hi—?— HEog
=2 J9vh. 223 ol tAE HAFEE o1 &%
Az Aele] AA7F ¥ (real-time implementa-
tion)elel & & glel, 27| ojA" AlEAe] ol
bl 71 & 4FgE T AL olvke Kaiserd (3
Al Bell d7aelA) vlxg dele] dA U F=e
P AF ZHol}, Kaisere 19 975 314,
E3AQ A "ele] AAYHE A4 duch o
AE Az Az Fole 196549 discrete Fourier
transform< &3} o g A4 4= Qe du8Ee
283 A S ALt o]
9} Tukeyell 2fste] Algt =%er fast Fourier

transform E£= FFTE 22l A3z et U FFT
g yE]|E&L olntx TiR|" AlFAle] HoleA 713
"E“Bﬁ} w|Zelaty & 5 gl& 7;i°]‘4. FFT ¢

B.FF 7414 S dA4354 24t FFT o;_}_._a]~.4 £
2 i B3R AsAE duege AAL 7Y
< 7HA dkden, =i Fio] oy B
Alxele) AAA e g A st

tAg Asxele 238 13 o] ZA A FE2
2 upe] A 5 gleh AHA B2 opdE -
g WE7| (analog-to-digital converter, A/D)
olc}, W& Aol R A& A4tz 3
+ A% A7 O Fee] A ded, dE
B9 A4 obhdEa YuE Zerh o’ A+
ohd2 a-t|xg W5 R8sl Foi] ofdE
AZE oo w5 w2 7|EER wlEc o] #
A& ME¥ (sampling)elgt ¥t oAg 4354
22 FAse PHA & discrete-time A2
olg} & 4 glt}, o] REAAME tAY e ulE
48 Azl tefdt gAe dsAe] FAHEE A4S
A7) (digital filtering), A&7l FAHAEL 3
A Axdle] Exlo) uel AARL. oF T, T
A Aze] A sepielss 34 A, ¥4 A
galrldl Helg Y2 Foizl AEE HEATIE

» ANALOG

syste .
I igital Filter converter OUTPCT
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5 ookt E4S ALY 5 ook dA"R AlaAE
o] mpx)et RRL cixjed-old2 7 WEH(digital-
to-analog converting, D/A)ele}. o] ¥-Rollx T
A e} ATE o] opdE 1 He 2 WHE At

I. MEe

A dFstgd o], ohdEa A3 Y& A
34 7|eS L] Y, HA ohdraT
2g W71 E ARl opdE o Al E YA Al
32 upitoio} gt wighg 93l o|2ACZE= W
< i Se] AHgd 4 gloy, AAHez S &
e WL Fojal opdg g AFE FEE AT T
Avlc} &€ (sampling) 3= Zelzt & 4 gl
a3 20 ZAE wie} o], FoiAl opdRa AZ
(% TET A7t 244 T2 vt 4598 3w
7¥AsiAL. o] AS, AEYIH ZAF, F A" A
x [n] & o3} o] vpehd & g}

x{n}=x(nT), - < n < (D
OAG A5 x[n] 3 ohgdRa AE x[] Aol
WAL, AZe Edlo] zUHE dejolA (aliasing)
olghe A4S BFslmz A & 4 gk

Sampler

x(t) x(n}
T

y x(n)
—_—_—— n

Aejolr) RS Fal 4 (frequency domain)oll
A GA Advdge] zc B34 g A% x (] 9
z-#8kz-transform)2 Xt dlz, ofd=1 A3
x[f] 9 Fourier-#% (Fourier-transform)2 Xa(w)

2 2k CA" AZ x [n] o RS Aol 23}

of the3 ko] & % Sk

@

X(z) = Ex[n]z"‘ (2)

A @A, z= & 2 AR, g e AL
SRy

X(e™) = ix(nT)e"""" (3)
g, opd 2 AlE ()= Fourier-E¥# (inverse
Fourier-transform)-& AH&3te] A (4)9} o] v}
e fglewg =

X0 = o[ X(@)edo, (@

A (3)& ohea 2ol & 4 ek

X(e®)= E ——f X, (@)™ du e (5)
= 5; f mXa(w)n-zmei“‘"T‘“”du (6)
< § SXlw+2m0)/1] %)

A (MHE 38 PAg 2% =3 (spectrum) Xe*)
= 243 (scaling)Hlol AT AL Fa &)
e il opdEa AYEY Xw)Ee o
EAEE & 5 3ok

a3 33 23 4o YRAY ~HEY Xe® )9} opd
27 A¥EY XE)Alole) SAS} Adn Heoix it
ohdza A% x(t)¥ Fo 54E o537 2] 7}

e},
X, (@)=0, for| ]| > % ©(8)

oo}k A4 wek W& 14 T 9 gu
T‘% ’ih:}‘{i. Al (el 1) & P 429
et 23 30 A% A 3l
4 °ll AEYY 714 kel A AR, Zzt
9 j"‘a Alole] Arle AAM F3izlch, AX T
el T 9] gEn & A$ FAYLES M2 HAH
Al e}, olejzto] F Fulg i Aust e F
g dlg o2 o] F(shifting)He AL delojd




uAg JdzAele Jhe * Ve B

ofel qheh. 27 4ol Fzjojr] Aate] A FHoA Qlrt
ujeh] Foixl ohd2 o Alsvt Fuig Fol A A
S 7K w), deleld A2 wAE 4 gled, o w
He AEYe A TREE $83] A ke Aol
o} ol 22 PE 2% AEHYS A=l (sampling
theorem)e)2} aha), AERFS] A HAT AZAF

o] 71 28-S o]FE F8F deolth
Xa(w)
1
___ ﬁ/.r\.ﬁ
-wT T
X(e)

-Sn

3% 3. YA 2¥EH X)) obdRa ~HE
& Xa(w )Ato]9] BA |

~3r - L4 3n Sn

Xa(w)

4 ?
-5r -3n

1_
1

w

a8 4, gAY ~HEF X" )9} ophdRa AHE
% Xafw )AF0)2] A 1

. Linear Time-Invariant System

Discrete-time A28 Fo1zl q1¥AF x(n)&

(1048)

AT FH wet FHAE o2 v W
& 4 leh (23 1 #=F) F3] Discrete-time Al
2de] g€t &3 2lole] IAlE g 2ol A&
ARGt el 4 gt

y[n] = T{x[n]} (9

A} (9)ollX operator T JHAZ x(n)# E¥HA
% y(n)Akel9) #AE yehdc} Discrete-time Al
32 Alxde opd@a AlAgld] wlsle @ A
AL AYx gich

E3], Discrete-time AA=L old2 1 =]
2E o] oH¥ AxZAY ( AlzHg) S 7}
3t Frhe Z Aol sich webd, @ Al
Folz] A1ZE YA AE A we Al A
Zlah= olf7t o7l Qlch

Fo0izl Alade] ohgn) e AHAS M b, 2
A 28-S linear Al&de]g} o} WA, F AS xi
(n)# xe(nle] Folal Alagle] ¥ Folm FAIS
yiln)& ya(n)o]l 72l &FEelet 73 ol
3 A 2", dHe 2 axi(n) + bxe(n]g =43t
7Hskal, o] well, AlxHle} o] ayiln] + bye
(n)al AS. Foz A2"E linear Aladolzl &

T

o} 3 9¥ x(nlo] &Y ynl& 24 A¥
A% x(nnolL E¥22 y(n-no& A4, F

o]z A|~€l& time-invariant Al2glelg}l gl

Discrete-time AIARE FoME, fdx 3T
EZ71A)9] A&, & linearity$} time-invarianced
2% 9EaE Aa"E2 53 $8319, linear
time-invariant (LTI) Alz®le]z} &k LTI A
259 7 8% SA4L, Aoy JHs &
o] FolHg o, JHAE x(n)d# £HAE yln)9
BAZ EEE4 (convolution) & E31o] & Al
Zo] THFE Aolat & £ g}, B

sinl= S dn] hln-k]

webd, LTI Alzdle] 44 29 boll veh gl
of. Qdx &5 hin)el Slake] Aasle) Aol 2
Qe nEdez 23R WAL e 2L
7158 Abgstel et

(10)

-t

yinl= x{n] *hln) (11)



. vocal tract
impulse response

hin)

excitation signal

o speech signal
e(n) ——————»{ System > s(n)

[}
54

a3 5. A15e] mdg)

LTI Al AzAe)e] B& $-8Hokel AalA
L2 AME T Qe & 24, A" A AlEA
2] (digital speech signal processing)e & 4 3l
o $AAEE ST AEE sl gAE
th Axe ok dubdoR A7ke] 3EZe) uwlw}
A3 whth wEi, Axe Azbel wet o A4A
o] AA3] ulH & discrete time-varying X2
2 24y & £ 9loh w3 20459 AR »
ol M= E¥Aolz} (independent) 71 ¥chd,
A4 %E discrete time-varying A€o &9
olz} a4 & 4 it} FIA o Yolrta, Axe]
Bofo] AAE| viHRZ AEE mds] ke AlAH
2] AAe] w9 F2 717HE gtellME (clE B 10
WAl 30 ms) At 7 & 4 Qi) Anpre
2 A4S sin)e #Le ALY kA WeAe,
chg2la) o] FE-FAE Elo] 23E 4 g}

s[n] = h[n] * e[n] (12
Al (12)9lA, hin)& A= 892 $9& e
o, & $UAEE B3I A (12)€ LTI Aj~d
o] Z+= EEFAoleks A4S $-83 Aol A
Az g EFEokdME, s(n)AARGE s(n)e
T4 h(n)# eln)E Aejske 7o) e a3bH
ojct, 7 o]g} 2+e He)E 9lste] W whHEo] A
g} FA AL HeAz gl) shte) o2,

homo-morphic filetering® & 4 glc}. &
V. C|x|gt mgf 2a4s

=Rz o 2 t)xe Pelgk discrete LTI A A® €]
Al| (realization)elz} %3 = ¢}, dixjgd Pe
L A F 2% 5 4% 982 &9 (finite

=TT

impulse response, FIR) Jeje} 3 g~ $5t
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(infinite impulse response, IIR) Y& 2 & &
k. HEl9] s Fio] 3R MEER BAH
A o, 2 JeI§ FIR ezl 3o ubdo] "ele
dH2 Suo] T MEER FA=HS A o),
2 e S IR ¥eje}l ¥-E2c) uleiA, FIR 9
E19] -8 Hr2) 2 W 28] ohgiieg o8 Als
Zroj viehd 4 glch,

H.(2)= Nz-jh[n] z" (13)
uhde], [IR "e Wk Hz)e o3 2o
rational )2 A=}

M-1
Ebm "
H,(2) = 57— (14)
1+ Ya z7"

geje] AAE AsAe A FA 2P 5] T4
of 3}e, olefdt ZAEL dubdoz A7 dY =
= Fa digely e ZEE Fo At AAAHL
2 8L AT, o= 54T Fu5 ddeg 31 4
713 2 99 gde 2 A)7)E A4S = gH
7t we)] AMgEW, oleizkd A AA WA Fu
T dgellde] 2A52 gdde). Fo3 AA #A
ZAEE HE3e A gelo) AAFA A A
Aol Fojob & AL, T3t We9 B
(complexity) & FHAgroz2 fA#ok gl 7o)
o},

IR Feje] & AA whge, A3t oldza g
AARF AEYS 53l Oxe ez Wy
7)1 whelt}. o] WhEL v de] AMgsEe] Az
e, 1 o]l A, ohd2 a1 He] A whye]
A go) =] slm, EA, 29 o] Ay
ohd2 1 Je] AA 71eS v ge] AA o]
saz} gtojch. oozt TiAE Wy AA whye,
&3], H9E7}(ow pass). ZFET(high pass),
N9 E7(band pass), 22 HHGA A (band
stop) HE]5-9] AA) =% avgzelct AT
T8 o2 e oxY "ejze] Wk 3o
A F9 sllo} & A&, kX (stability)elch. &,
stabledt opd2a Hele] H3E stabledt TiAZ
el & whEolo} dht}. wo] ARSEE Wi wow
=, impulse invariant ¥W13F ¥bH st bilinear W3

.

=2

=2

.



oA Azxee] e B 7le F1

=

=

Uy 5L elc}. Impulse invariant H 1t

W wg el dejeiAls ) o} olebA,
impulse invariant ¥#-¥ band limited Q&2
AA R Zgsict & 4 gt Bilinear {3 WAL
impulse invariant W&k WAdA 2g=E Azl
A FAE wiAl Alck. #v bilinear ¥ wWHAlollA
= oPdE Fel2 Y¥e] ofx2 Fe|29] mapping®]
#4338 (non linear)elehe ©go] i},

IIR g} Al lolA, Foizl A BA 270]
Aol AFI WHF wale] A2 A3 A
5. AFEE A3l HelE AA ), )9} 2]
de] AAE $l3ted, A¥ =& vjdd PSS
AFEEZ F= 4PHE computer-aided AA whHola}
gl Computer-aidedel] 71&& & 27kx9] IR
BE] AA o] He] AA Fopell A= gt

e IR e Aé;z“ HHE o] EAF) ullo] 3}
A ditka @ e ook AMstaal e 4=
of wel Ad Hgt el o 4 Jde Aol
v, 22 A% IR ¥e A+ bilinear W W
A& AH8-3le] lowpasst} bandpass HE]e] Al
ARS-F ]

FIR g+
o], FIR g &

[+ /‘-

.
=

7P‘l-‘4 AHE 23 gk A% &

A A (stability) ) A3Ad
(realizability)e] X 7“ "o}, 2 olfi= FIR ¥& 9
dEa S e 2 e HEER B
AlE]7] wgelct, FIR "ejo] =o}& SAL gy
2] 94 (phase)d A3 (linear)o2 AA & 4 gl

the Zelel. wbdel, [IR FE&= FojRlE AZEEH
(magnitude characteristics) &%-& u}]—,— A B
22 g A g gled fE A¥ez dAE

71l ogihe 2ol ek

FIR ge AA9 7} dizzql wygeze
windowing ¥4& ¥& 4 9lrl. Windowing W
AolHE, #3 HolE ZE windowE IIR
sequencedll H4-A# Awd(truncation) g2
FIR Ze|E F3d3} Bo] AH-=EE window®A
rectangular, Bartlett, Hamming., Hanning,
Blackman, 281 Kaiser window 5& & 4 ¢l
t}. Windowing ®4]-2 #-¢ Zbslx]gk, IIR
sequences Hdsh= AN A7) Gibbs A
) F-oll sharp cutoff filtering®] olEthe o]
gl}. whaba], sharp cutoff flteringe) £749 7
. AH-El= window®] ZHolr} AdHeR Soud

i,

(1050)

o, olzldt IS T BAEE S5} A3
tiAle] A4, Windowing WAlE AR&3le] A
3 FeEL, Foidl AA AL wFde A9

Hel= o}, w3t oy 7]—’?— (error criterion)
gkl A, Folxl A =AES FHHoz WEsle
FIR "HE]E A3 -?J%H/HT‘:—. computer-aided
AAMAS Hafjof g}, vt Computer-aided B
AlE AA o] AdA o Bijsly B AlAbe]
87EHE ©e] gl

YAg deje] Al elld dF shadEe] o
2 oot & 5 ek Hy, ol 5% e}
e gdeErd, L EFo " Eo] o
He]Eur} (dE £, IIRe] FIR ¥} vty o
A2 & = givh w3 e E A4 A
A7t ke FAe, TR "e HA 273 AAA
a3 AR = Qe AR A5l w2
o]xjo} & o]t}

r=

V. OxIg M= Xz| & (DSP Chip)

YPPgez, bAY UE Y duelFEE wE
9 ALE ATV Fol, Al ael3ES
AAZ 8 ol 4ET F, 44

7t 79 (real-time 1mplementat10n °] -a,—ﬁ.?i} i
Aoz oF i) olepe], @ ofe] AXE 83
= tAg A3 A gaEEFEe] 7S 35 Al
2t 34 (high-speed)
g Az HE A (Digital Signal Processing
Chip), =+ DSP #elat ¥-&c} o]21% DSP I&
< Wazg 5 9 vz 5 Ao DSP 4t
(operation)e] 753, VLSI 7|¢Y 4% 24
< g Z717F AR ole) 2 DSP &S] Ad
& 77 st

A2l DSP A& AgdelA
7l o THFe
o} o]g chefgh A4t 59,
% 249 71 A, a8m
2] (multi-processing) 5 ©)
DSP #29 7IAE ol% ¥ £ 7ol u=hy x|
o2 A3 Al §8-Foke o2 E A g3 =
A Aot}
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