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4 gz Zdsn Y dajedle Az (real~
time) A&7} 7t E48 ozl L2 AA (special
E& ol g3t thdl o
Ae e o 22 E (algorithm) % 3T T+ Ark
AL g (adaptive filter) & Y F (band width), =
(notch) F3t4 59 Tl zlebele (parameter) &

A 7kel| uwhe} wistsle Ad ZaAdAdel & 4 ek
AL Ml 9] A4 (coefficients weights)E°l,
B9 EAR £ wlstol] osl 7ol we} w3}
Al =l Aelrt

19403 tHoll Wiener!!, Kolmogoroff'*!, Kosulajeff'™
283 Krein' 5ol 2l8) 4708 Wiener Hejale]l 7
deo da 24, Ale], AzAelel ool 2 7R
o]2.0] slo} Ark ol ool oatd, A e Al
& (stationary signals) & ¥-8 T3 -
(statistical information) & o] &3led HA (optimum)
Aewle) AA, @ (random) Azl EAe] 7HF
sick, no] drlek AHFE 7 P57 olAdE o
Wiener He]3] o229 $&°] A3 A<(linear conti-
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$7ql 2#A A1 ¥ (recursive method) & AL
‘3". Aol glo]A, M Alzel Hug FA HuE
Foles AL o]y e dolmz I AY JAAE
& ol&3te] EAE B&3 A7)7E o =y, IS
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stz wEgHol d 45 ek

olu| Zofl, A Alze A EAo| Al7lell uhe}
W3a o Belo f)olE (weights) T 2EE & e
P eg Aelr] el B ATt glo} gt ol
st daislel 7h3 del 8" Wleze SER
(SEquential Regression) ¢ xelEiens &% LS

a2 LMS (Least
5 AAAE E + ek

2.t} (Finite Impulse Response)

(Least Square) 3]s "),
Meam Square) el
2 Follds {8 QEA
Helol o= LMS% Lol s oher|2 det. LMS
drelEd
2e|e] AF HF (mean squared) FH-E Fo|7] A F
How 1 gdlo|es 2y sia) maks|glet o] WL
S-g¥olol QlojA AFAelglo, BebwlE 43 (con-
vergence) 427} 235+ A9E Ut o =
=l "F‘?é‘{\:‘ii‘ #A3sk7] Y8 LAT (lattice) v+ ESC
(eacalator) & 2 Lt 74 o] Aislo] Wiener
e & Adselrlel o|zzich LATEHE 2 =
9] A (analysis) & &4 (synthesis) "%, |} ol
Ezy ~ded
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2 A (maximum entropy spectral
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3l -—.E- LMS 212 5g A8d A3 (adaptive) W
£ A<tsisich

ESC%‘E‘I FzE AL odol(array)AlE  AHHUF
2d0z e F2ele Griffiths", 28 2
Ahmed®} Youn!'?, oll2l&l] ESCH¥ T+27} Gram-
Schmidt orthogonalization procedures® A#AZd+
ApAdo] alZsleich, =& Ahmed$t Youn® & TDL
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T2 hAE wEsc

Widrow”} LMS <3g]E5-g 43 o3 we 5%
o] o]ZojAt I ozt AL olE|L} A&
g Aot X A8 ] 4] (identification)*" A
3 %3l (channel equalization)**®, 7] 2 x|
I €] (self- tunning notch filfer)® 1% b3k 2 A (echo
cancellation) 3%, Asleat 2 (estimation)****,
2}q]l Q¥ ATE (line enhancement)**-* oW E
(event) B33 2] A 5] (seismic signal) & ©l&%
2.4 (deconvolution) ™, T4 A3 AU A B
A+ (phase compensation)*’!, MSC(magnitude squar-
ed coherence) @4 Z AN A7k A FAM F
o 5 & 9}

o Alol] 4 2} Zo| AL CxE LE & tlorg} a4
Fololl4l 2§ S HHFsiL e AE Y #

olet,

i)

o
©

. X el (Optimum filters)

£ 7l2elA gFe dgE 24 AF FE(LMS)
24 23 (error) 9 WA HAd Aoz 27
olglgt ¥& ez Wiener BHE T4 Ut

| A ASD b} ve Fhol B BE
E olFX Q& A7kx Hehel T Al £
z 3.}4.

+

1. ¢ 4

Pe o T chgo 2@ 1o vheh} stk o7
A y(K) o x(K) & 272 94 (primary) 4= 71E
(reference) J&oli HE e 9 dolezs wE
dejole] st Alse A4 Ael(stationary) 2 7HY
gtet,

0

o d"y e
J H

x(k) ytk)

a1, AH g 74

o714, FAlE A4 949 y(K)ol sl 9 y(K)
7t 71298 x(K), x(K—1), = ,x(K—M+1)e°l 9
ol % 38 (weighed sum) 224 713 ZARIES 3=
dlole we] HE Fabe Zolch. 1718 Al2glel
A Qg -2 HAAE ohgFH R
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e(k) =y k) -y (k) (1a)
=y(k)—:§hm><(l(—m) (1b}
=y(k) —H'X (k) (1c;

o 714,
H="(he hy----hu-1)" (1d)

24 (Mx1)4ole wEolxn

X&) =[x(k) x{k=1)-- x(k—M+1))7 (le)
2 Azkold e Mx1)71E 42 e el “T = o
A 33 (matrix transpose) & £t} (la) ~(1c)A¥
F4H cheel 2Rz 2ol Heh 1Y 2L 2
€] 7%+ TDL (tapped-delay-line ¥+ transversal)
el 7b gt

70 _QD_—_J)

(k)
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od7lell A, ot ol AolslE AF HE A
(MSE) & #438lst= dole wle] HE Fallof dcl

e=E(e* (k)] (2)

2)Ae A Ex EAAQ 73 (statistical-expect-
ation) *ol (k& o] Adsla & %= E7F A7
53 F 14l (Time-averaging operntion) &2 ol ®rt,)
€€ ho, hy, ~huo® T2 FEA HAR
&4 (quadratic function) oIk, 133 & M=2w)
9] ¢ viepich

2ol MSE eming HFske H—( K)™E 7
#of et

2 gy dole] 23 9 Fgeluz AR
&3ke] EAst

Vyge=0 (3)
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T Ak G714 v, flole wEl Hell g 9
71€ 7l (gradient) ol 0+ (Mx1) 9 o (null) ¥
olck, 71¢718 Fad g3 Fo] s+u

Vae=-2RuH+2 P (4a)
o4 714
Rux=E(X () X"(K)) (4b)

24 (MxXM) 9 71% 918 27] 43 (auto-correlation)
g Aol

Py=Ely (k) X(k)
24 y(K) 2 x(K) 9 (Mx1) 4%
correlation) #WE o}

(4a) A (3) Aol AN3ste] A b5 AL
4 Slole wWelF 78 4 AUt
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ol o] a4l o2 el Wiener sfolch

o} g e FAHoNNY F2d
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ZAo| sh5sictE Heolch =l F 1y A7t 4

WAL gom(F Pye=0), (G2)4e A 4ol
wWelE (Mx1) o (null) HEl7t sl Addez
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2. #A$ AA7] F4(noise canceller configuration)

A AAE A FALS dHANAN A&7 "y T
A3 et

o714 A Hele 71E
Holl 4ol A2E& AMAss ALE ok YA >l
Adde FE ne(K)7h Y3k AT s(K) o ¥l
(uncorrelated) FAlel 2 71F 1¥ 4 X(K) =nr(K)
o] Azt @A gk Aztel AlsE chgF o] v
ebd 4 gk

y (k) =s(k) + ne (k)

x (k) =n¢ (k) (6)

oz, 246l epd R o], dAFe 2F
A9l &4 A% s(K) & HAgel FAe AFE A
Zrgel, o] Zgoll 2FAL vl ool A vlolaz
Foz BAsE A y(K)ole deFe o zagy
s} o)A WA E AL5ol EYslng AAE A
2 glole mAlo]l TaksA "ol of FAE T3}
71 YA H5Ed A4S dlw g ddool & Aol
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owmi] 2349 vlo]lazEalse 22 FFE @
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9 n(K) & 22 7229 (noise source)oll 23 Zo]
og A3 AL 2 o 4 gk o714 y(K) <%
x(K)S 23819 4 dejo U4 957 71F 44
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¥ 2.3k AlZ (error signal) e(K)& dle A%
s(K)ol A28 sl Aoldh og9 2/5€ A%
AA FAE Yelde 94714 6D+ FA9 AA (%
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s@d :@ y (ki

elk) ~ sk}

ne (k) xtk) ¥ (k)

385, As AA7 74

3. dl%7] 4 (Predictor Configuration)

A A&27)e 214604 A3 Wiener L 2l 9
H AZE b o] Aosle E438 ALz A
& 4 9lon] 2 FAL 28 gol vleb} 9o

x (k) =y (k—2A) (7)

(Fr—
-

xth) —yik a) ¥k

vik) elk)

[~

a6, AF7 4

oletdh T4 e 2H AeE A9 TE (samples)

y(K=a), y(K-a-1), -, yk=Aa=M+1) < o]
&stol A2 qiE y(K) & sl s},

e(k) =y (k) - y(k) (8a)
=y (k) - th y(k~A-m) (8b)
=y (k) - H'l(k o) (8c)

o374

Yk=2)=(y(k=4) ylc=a=-1)-

ykk-Aa-M+1)]7 (8d)

2:148el A2t shadrta] ez A o A4 wg
& oh&at zol Faalch

_li:__R_;;’ Py (9a)
A7) 4

Ryy=E(Y(k-2)Y"(k-2)) (9b)
:LE]_;_.

Pyy=Ely(k) Y(k~-a)] (9¢)

(9b) A2} =7 4% A R,,+ 449 Az7E AR
Aol 44E M=z Aol dial =3H (indepen-
dent) ot}

A&7 T4 Fog EAL, ¥ AF y(K)FY
AAA (AY o2H)el AL AAN =He A4

oltt, %, cl& 23 e(K) & ulA® Ao e
A et o] A4Ag olgstd dlolete) gk (com-

pression) ©] 7l58led Halsl 71$ 24 LPC (linear
predictive coding), DPCM (differential pulse code

modulation) 54 5 4 Urh
M. Ze 74

13129 TDLHE F2% o
TAS F AeT wstoh

of AollAE Wiener e 2 A vl £ 59 U
FAel ohal el o|AEL chgAA A3
g (adaptive version) 4] 7 D]-—rﬂ] =), w
E 427 sh= /(o2 5ol of
A ALg-E o}

£-3lo] Wiener ZE &

4
e l': ot

1. Az} (lattice) Be| T4

Levinson &2j&el o8] LATHE S FAF "T‘
Aedl oL TEA woz 23 Hg gole
Alabshe wbAleojck, 2 ol =
cessE o3 LATHE 9] 25 §5al W
A=l glet o

°| A& bordering processol &l&l &=} Helgf A
F7F FallA ke AbAlo] sleld AHolch

va(k) vi
——
vk}

- L

walk+1)
x(k)

matrix bordering pro-

AP &

a7, Az (Lattice) WE S F4

3o 28172 LAT Hele 748 vepieh
o] Mele] Fa38 AL g3} A}
@ U(K) &= 2719 Hejolsd N=Mduf2|
2 e(K) 2} zbch,
@ ev(K) & oh3 Zo] ZTd5E A = 23
(forward predxctlon error) ot}
en (k) =X(k) - Z den X(k= 1 -1i) (10)
714 dy,n, o 1, N-12, 3}A2] NAg
2F x(k-1 —-1), i=0,1, N-12 %6 39 g
H x(K)E dFst7) 94g 2= Ag & Afoch
@ Wyllk)e o3 ol 3ds=le 38 o2 23

(backward prediction error) °lc}.

4 9
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A¢ dA" Fegs) 2 38 5

WN(k)=X(k—N—1)—r{ijX(k— 1 —i) (11) Aa o] 93}
4714 Con, i=0, 1 N=1&X (k=1-1), i=0, 1, yar () =x(k=1) 3 x(k-2) 24 y (k)& ol
------ N-1%& ol&3to] X(K-N-1) % %Zd(%} ol %) =% Wl 23
Z vj#le 370z e HAd 2L 2AE7 4 35 D ey (k) =x(k), x(k—1), H x(k—-2)& y(k)
g 2A F3 olZ Aol 2 249 wof 23
@ ZA Az e AF a,, af, ¥ alv 47 AF @ xk-=2), yii(k=1), y2. (k)& es (k)= Mz ]
G H-B 23 (mean square local errors) va At A o] o},
(K), en(K), 2B Wo(K+1)& 3Hastshe @ 22 ESCHE Ale: 2% &i}ﬁel AF A
o)t #e Hastale Folth dlEEd o1 AW
=, & ohgat ol THA,
SE oy e I = a0
ag=E[e"-'(")W"-'“‘)] (12b) o] 47} ZFol Wiener HE 248 LATS ESC ¥ H
EWi, (k) Fzol sl Adudstgich A 249 AF HE e(K)
e, % #4az s A5E ZE TDLYESHE 22l LAT
a2 EWnoi () en-y () (12¢) s ESC ;qum: FEEe AF B 2x4E5E T
Elei- (k) - &lE) o A 2 AraE & o Ao
olch £8gtozA 24 o35 HadT £ s Aolch
® 3% o2z oz A2 vl A ol N. M8 Cx|g ¥H
EW, KW, kJI=0, i#j (13)

A€ vsh 2 Al e Ax e A7) 42 o
245 45 4% WeEe ZRUch AL ¥
$gol Slold Agol sz Fahe H97h ok
b Aol ek A5 $AH SA0] A (144
@ w2 2q0 2Rl ek ol @ AE
43¢ By rlgel 4Eeh,

" ek ek &
¥ — @~ . Windrow? LMS ¢ 3.2/52& FIR (finite impulse
o )
. = response) GElo] & Aoz 2 547 e

wj ol 74 de] Algs 2 gt =7 Stearns*tV
Feintuch’®*, Treichler!**~% 53} Parikh!*"-* %-°]
-8 IIR (infinite impulse response) &5 AT
o] ZellMe AHE INRIEo] i HE2 A=k}
7|12 e},

TDLT-Z 4§ FIRUe o] £2l tholojagfo] 2
2 g veht 9om o714 H4F Al U A
4% ZAsked, A4 98 HK 7P d4dor =24

i

2. ESC(escalator) "e] T4

ESC 8 +2Z% Gram-Schmidt Orthogonalization
procedures A¥3c}d o}ge] 2Ag L& M=3 Uu
o] ESC "g Fxo|ch

o

2 > I8
e \}0/1 ok °l

g3t 2o ao-;a L W (O
157 tey () =x(k-2) 2 y(K) & AT @i , :
i () =xi<j;z)i y(K)E AZE el o /ﬂm . W
yl.l(k—l)*:ikk—z)i x(k-1)< oz & boomeeen e ;‘SSE,Z‘X:M ----- |
el o
27 ¢ ea (k) =x(k—1) xj((k—z)i*l Yy E 2 a79. Hg wesl 4
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ol MSE E(e(k)) & 243 322 slojgeh 2
ool 24 eae e ol BHT 4 Yok

e(k) =y (k) - X"(k) H(k) (15a)
o 7] A
H (k) =C(he(k) hy(k):-=-huy (K})7 (15b)

LMS 23225 & steepest descent W& A3}
Rolrt o steepest descent W 2 HolA oAF
H, zA gy FAHE ASyPoz HYS o) A A
2lsleh, o)A U doleol dial A 23t
2z 34 4 (2 3gz) 2 =7 wfoldh

Steepest descent W2 A7k (k+ 1)l 3loiA 9
dlole we st Ao} slole wejs}, H(k)ol =3
MSES®] mlo]tia 7|-&7lell vl st wstekzte] ol
e Aol 2 2AEF £33 3ieh asjEE

Hk+1)=H(k) — ¥k (16a)
3714
v(k)gvg(k) E{ez(k)}
=-2P,e +2Rxx H), (16b)

oli W4 47t o] dnYFY M
A "k & 49 3ol ARG Fetel HEsb 2
A "ok ARl dolAE VK (F, Pu® R £
G547k Qe A7 weme 23 slop gk 29
22 v(k)ol A Widrowd &3S g3 3ol
et

T =T fe? (K)} =26 (K) Ty fe ()} (17)
oA mHlAl, (k) 9 AA 7187l w8 $3 7
2710 93 ZAE £ U= Helwh

Tuo e ()} 5 Takd

Tuoo {e (k) } =Taao {y (k) — HT (k) X (k) }

=—X{(K) (18)

A7) (18) % (16a) ol =3ty 3 22 LMS
dxnEgez Jepd 4 gk

H(k+1) = H (k) +2 e (k) X (k) (19)
ol Aol 2atd AlZel gt A Ao} A GAbel
29234 Hoh (19) 42 He 7S A3 LMSYT
gEoluh, AA gl& oA X (k) 7F A2kl A A 9
ABAdolet 1A (F, E{X(Kk) XT(k+j))=0 j*
0}, LMS 2x22E22 Bias7t HAYL A A4
£ 72 4 9tk F,

{f"’ E{H()}=H (20a)
o] ul
0<u<1/Anax (20b)

A7 Amaxe 71E AH A7) 43 P& R H

o}o)7l Z}(maximum eigen value) & S&e},
£ e LMSERF(F, A5 A7 S
7)) 2 "ol AEd vieh o] AAE qJHE st
#HEozA 78 + Yuh
TDLYE A4% 2Ase LMS d335s 43
5, 712 8 A7) A3 P38 Ruol HE ool
7ol £At(spread) ol ahzt AA et of b &)
71 98 LMS% 22 5E, LATS ESCHE A4
2 z2435% ALY = Yok F "y 729
Gram-Schmidt orthogonalization propertiesoll 2}3H,
Ruc®l oboldl ghel S4bo] 2R3 43 455 2
P ER
3204 &d whe} Fo], LATS ESCHE T2
A9 HAA delEe AF HET ¥¥ LAELT HLAER
a3k gEolvh zzz LMS 2xndgE vlstA
2, LATsk ESC d¢ Als5d 2435 adz A
4% + At
Al (12a), (12b),
o

+ gzelE

1

oo

(12¢) ¥ (14) o o8 &3 3
AgAoz T3 4 gk

LAT :
an(k+1) =an (k) +2 2 Va (k) Wa_, (k+1) (212)
al(k+1) =aZ (k) +2 ¢ en (k) Wa_, (k) (21b)
agly

al(k+1) =al (k) +24 Wa(k+1) en_: (k) (21c)
ESC:
ot (k41) =ai (k) +2u e: (k) yii(k—1) (22)

V. AlE8jjolMd

4 A o) 715 dopurl A L1 2 A
550l el A% wrlz Aok ohE WEE(EF, A

$5 AFM), £ "5 (w)TE Hol A4S

E1. Aol del Agd As B Hs

M=No. of
y(k) x (k) » “
coefficients
Filter sin(27-25k/1284 | 0. 5sin(2 7+ 25k/ 6 0.025
18°) 128+77") +sin(2n-
10k/128-+-63°)
Predictor| v 2sin@r:25k/ | x(k) =y (k—1) 2 0.025
128-+30°)
Noise sin(2m-25k/128+ | nz (k) =0. dnp (k—4) 16 0.05
Canceller| 18°} +np (k) *

*np(k) 8] 4 (variance) & 0.5°lt}h, o] A3 A&
= sgt zbwt FobE 7H7t 10Hz9 15Hz2 sk
8 i} Butterworth B. P.F.oll W4 xt-2 (white noise)
< E2AA4 Qe
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g cA e des 2 g 7

ek o714 BE e, LMSL Sl o = yn) & Asle £8 ym)ol A3t 7hAskd g &+

=

Ase A4s 2+ 248 TDL e 5 ol4s T 2tk n=1000014 22 g Helo] 25 54 (ma-
AHolct, gnitude and phase response)® L& 1le] A|4] =]
ol
(@) y0) et
.0 BRI

o 714 magnitude S5°l 10Hz2F 25Hzo A ZH2- ¢
722 slv AE 4 4 Ak 7-31—‘13— X(k)ol Z
glo] Sl 10H, AEE 9
A Ak =2 A4S g ol y
5% 3o e(n)o] 022 ZasH 0]-°’"’]’

3212, &7 Aol a4 e AlEud
ol A 4

7] FA A5 A y k) Sh 2ab e(K) &

________ 19 23 12(a) Sk 12(b) o vhept ek Aol o
; N | s shie Adals 2709 foled o) oz 2

B I b I I L
EEMAZ| T 2% 13(d)E L3 &9 ¥

I A § 54
ojct,

2% 13()~(d) S vas 2w oy ojed B}
He{ 74 : 238 10(a), 10(b), 10(c) % 10(d) ¥ So] AAl AAH AEe B & ook oS oo 2
Zizt 271 98 y(k), 712 49 x(K), 243 o4 Al 213(e) o 13(Holl Y= 27] Qo] A 2 Aw
3 e(K), 28]z Feg 28 y(k) 3 2oAF2 QY E 2} (power density spectra) @t 232 (error) 2%

24 e(K) € A4 FEH oz 3ol w}a} vl g S4s) Aok
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EFIRERE H 1258 5K

o}
=

V. ¥

=3
=]

oldzt zeol AH, AF AA7 o

A Bejol ojsh skob wgkeh

A% 7] F49 2
oeigt 24 48 e
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