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ABSTRACT It was demonstrated that the glottal waves are different depending on a kind of vowels in deriving

the glottal waves directly from Korean vowels/a, e, i, 0, u/w. ch are recorded by a male speaker.
the effects of glottal wave shape on the speech synthesis were co-

sizing vowels with five simulated glottal waves,

After resynthe-

mpared with in terms of waveform. Some changes could be seen in the waveforms of the synthetic vowels with the

variation of the shape, opening time and closing time,

therefore it was confirmed that in the speech synthesis, the

glottal wave shape is an important factor in the improvement of the speech quality.
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