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Abstract

An algorithm on time limited signal extrapolation technique is presented where the total
extrapolation process of iteration method is achieved by a single matrix operation. The
proposed technique and its implementation has many advantages over iteration method in
terms of computational saving and accuracy of the results. As an example, in this paper,
appling the proposed technique to ultrasonic diagnosis-device, we prove the excellence of the

proposed technique,
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(b) The discrete Fourier transform of h(t).
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