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ABSTRACT

This paper proposes the system that offer super-wideband speech which is made by artificial bandwidth extension
technique using wideband speech signal in time-domain. wideband excitation signal and line spectrum pair(LSP) are
extracted based on source-filter model in time-domain. Two parameters are extended by each bandwidth extension
algorithms, and then, super-wideband speech parameters are estimated. and synthesized. Subjective test shows
super-wideband speech is better speech quality than wideband speech signal.
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