20139 g=rt53otg] sl St 3]

LHe reste) 4T Fe A% 7 LPC Ve

S T NE wRRS a9s

ofN

# Gl Sk A AHEAI AT
shamwk@kw.ac.kr

Adaptive LPC for Performance Enhancement of Audio Coding

*Ham, Woo-Gyu  *Ku, Ja-Seong *Kim, Ki-Jun #**Kang, Kyeongok *Park, Hochong

*Kwangwoon University  **Electronics and Telecommunications Research Institute

2o}
AAEE oL 5353517)9 A S s 7h LPC 7]to2 AdER S Jeks) of= WS AIHEth AQHE WY
2 9 scale factors 5Y3H 314 HIE &8-S Z7MA7]3L spectral holeo] HA3H= EAHS 3148 4= ok E=3
7HA LPC HEE AFEste] 2 B4 et ~9E9 Jetsl g /pig o 2dste] 45 s AFstet Aetet
o] odulk LPC ZH #WHTt A9 Fa3 Aes A7 ~HEH 43& HaA7le= 2s U8k
1. A& T2E A, 53] LPC 2H Y $4& 25 B4 7hidow =
sl Rast 459 S QEF drh LPC 7|9 3+ Heksh=
MPEG AACE HYe 2rled) distel #58 Jo% A8 ag yper A% 79 F MDCT 9904 LEC 96S 443k
T AR EEAA o] AstEe TARS T 1] B =dAe $gow A} WA, AU AEe] A AFo] U LPC A
ARES AAC Fast7lel A Fde A5 7k LPC 7]ibe) 2 Tet}, v, LPC Al9E 2048-point DFT 3led LPC 2~ E=H 7]
Ed Hekgl 7)&8 Algkeith. AMR-WB+F USACY] TCX ol|A+= 2 Fala, o)Ae o AHENS MDCT A5 d8ste] A9
4% A50] LPC LEE 2 §3ho] M‘EE’M M?l LPC A A gugs 2a90. Lpe 98 41 948 99 LPC A48 Lpz
SR Y% o F Fag AFE A s & AM-E 2, 3l W3 & [SP A42 2R3l 3ho] bit-stream .2 A4aTh B o
st ~HEH g FA3E 58 0}‘5 EH“% scale factorE TolHE 163 LPC 742 AFe-aha, AMRE) LSP A8h]2 Aks
U & F Slo] HE F&o] T, AMEFENA spectral o] xejolT Aehit= LPC ARE A% a0 [4]
hole £AIE AT 4 9} 28y 2~ E- o] HEts] HH F2 A LPC ZEE A g3le] ~8EAS Fets) A)7w 22 Ay o
Y elUA 7} Akl AL o] A8ellA 71E B 0w AF Ft VA 7} Zadta, 1o et BE g xm]odoﬂ IAel 937} =
3H5 3t At di=to] Frkehs wAME 7RI o] #AIE & AstaL Zeol U] 2 o7} uale shgo ] =) B3 gy
a7] $jste] 71ElE Aol 94 2719 o|5& n|F] wata FA AFAE 0|9} 7to] G} 0 AR Lg}oq & o =)o) 0.27} vt
3} 5} pre-shaping WS ARS-o), ey o] W Y FUS AEE A9 Abo) ] panningdl] 2 o] 2 ]_3,_ a2 olake] AH|
WP o2 o5& Hgslug AT EA wel Aol 7E el &4 29 image’t 9=EE BAZE wAG gepy 29EY e o
R Fol AvielolAe] ks A% B 9% F7h whgel Bas), 1
€ wEol s LEC 78 2923 Hust Aol s 54 BRI ol A9 LC 992 29 A5 S99l i Ao
of w2 71 LPC ZEE A4sh= WS Akt 48 ~9E"S 2 Agste] ~RED Weg Aw2 24 MHS Aot
FA8l EAS FE81, o] & 7[NEeR LPC ZH|| 7tAE A4 LPC _;JEi‘/] 7% 2R [PC WE ~AEH ] HE3 2 )0
sk, ojof upet s EAe 7tHA R ~HEY Heg) s} wa) a8 5 2 94 BEs|dA de) Al 7EA L A
EE gt} & 7€ Wt 2 A JestE 42 Sl A9A1 ¥ LPC JJHE A3} [4]. 7FER7)F 49 LPC e ASE 9
A Zzg AAAE A HHE Ne 540 net Hekst 74

A A(z)oﬂ 5% %}1\‘ r& Agato] Alz/n=E $8Y
C

e A2 S, A AT BN BE 4 =3
2. 7} LPC ¥HE o]4% ~HEY Huis} QF 92k raloln, A5 B4 B r g A48 $4L )
; ok ¢ E}.
B =R AHEE AAC A% BHS 98 71E AACA N



& 75l s Ash SR A oA 9] A A
Atk 5, LPC ¥H 29 ER o] [59] ~dE

< yehje LPC B ~FEe o 2iy god gy
i, Age] oux) 54025 E HE r s A4 53,
o] 7% r @& LPC A=ty A4 Faixnz, 7t 1dEo]

decoderol M= A4H LPC AG2HE 543 3 +&

O g® N
o [0 L _ Hel =2 o
Moo U &b
£l (R I 1)

- ~N

)

o

iin

o,

g

2
f!

> g

3o
&

wW
ox,
ofr
o
N

Mo o X fol o
Lo o e
- o N
= ;g A ) pry
- e foir T3
g £ o, o I+

g o
w o g =
_VE — ﬁ
T L=
flo e 0% ox,
o e & @ o
oo =3 LTS
e S E =o
> 2 o Rl ool
] M [ell
o g Jj jz: <
=

(U= )
= LR

g ow L f
o2 & 2 ax |
Rw oot
) 23 wn
w = L :ZU
Z ”;‘ X 0P o
o o oX, p Y
L = ol ol
W g o o
o N 2
Lo > M

(=
)
o
=
g
(@)
e
vl
=,
=
ol
ol
L
N
N
&
—
go)

=

EEEREEE IR
5 el ek 7

smoothed LPC

45
40
35 A
30 \‘

g 25
20

15 =
10‘\

scalefactor band index
O 1. 7|& LPC ZE{(FM)2t Mokst 7t | PC ZE{(AM)ofl ChEH &
=% SNR H|1,
Fig. 2. Comparison of band SNR between conventional LPC Filter and
the proposed adaptive LPC Filter.
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Fig. 2. Comparison of pan image. (a) Original Signal. (b) Using
conventional LPC Filter. (c) Using adaptive LPC Filter.
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