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He 9 AF A4 Aol allpass E operatorE 4+
&l olgfe} o] FA-& Fr}h o] Nested allpass HE]
o] FAE thgH Zo] EAZh

sample delay
L 151 ]

[ 1T [of T T+
b%

N4
124

MZdolgse &

sound samp¥>§ |1

N

gl
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~

&

-gl

N
Vv

(74 57 AEL0) RS 187 Nested allpass ZE|S] +3)

1
4

; Nested allpass T2 4

LCAK 50

LACD D(1000)
MAC  D(100),C*+
NOP1

WRE  D(1000),C*+
DRAM(1000)
LACD D(100)
MAC  D(1000),C*+
NOP1

WRE  D(100),C*+
DRAM(100)

; seting coefficient point

/SMHD ; store Sample

/SMHD ; store Sample

LACD
MAC
NOP1
WRE
LACD
MAC
NOP1
WRE
NOP1

D(50)
D(200),C*+

; load data to ACC

D(500),C*+ /SMHD
D(200)
D(500),C*+

;store Sample dram(500)
; load sample data to ACC

D(200),C*+ /SMHD ; store Sample Dram(200)
/ DOMH 0 ; data out to D/A convertor
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MIDE MASTER KIYHORD

(7¥ 61 438 ANxvlel A E)

@ Whe Aol grgos
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AEAG EEH olede Fololn, & FFe HFo
Wl =A% s1Fe] g2k odd ofE FHAUNA
AR o8l Mz Frh AASE 4 Yol Yws
8 Wyoz oae Frhhged na B2 s,
2 gneEel de QWA 2HS T 1099} 33
AoA 3ABNE St

DRAM

Bai4256 «2

Audio Signal £ Audio Signal

L L
Ay CONVERTOR b/A Convertor
(Sl TNS57014

Uivlay
Taegment Sdigit

(71" 62 A 2H s=do] TAHE)

AA dE2 2 T8 A3 & A&"Y (4
Tektronix FG5010 Programmable function generator®
500Hze) QB24 TR 2848 At zhzte) %x
A& 7EE 2 AxHe 289 A/D AHEHE Fal
2949 dol8 & 225KHz=2 JEF L 39 FHHFE 3=
tzzd 16 ¥E ZRE [AFL Yo FHAE 5
BlagrtE A3 HEF dHolEx 41KHz2 F3ho
dA4 73 dwrA]l CD/DVD &3 FEo2 7HyFd
¢ 22.05KHz7HA] AA2E Fol Ado] 7HstEE )
Ao, e A Ads7] Asl g A
Zoja THZ CDol $£EH e S4g AHS
Atk CD 598 A8z A oI 2 el A
At
7k AH AAG B 593 vpolARE Abel,

vpolz2 E3t A/D HWE FF2 Y kolzE 2
¢+ ¢lo. a2y CD/DVD "Hase H39 =

PSProcessor
TNSAT002

R

NICN
DNCHOCS2

NIDI

Control

L

]
EES

2ol

S 0] O
w T J =

&
Ae 2% TP E AuAY d2e 27
slol A S Ue A Aolmg Aoz o]z
o stk & 4 Utk

v AERFAA LaHeE HEH S AHAHAM 2
gde ATE 32A 958 & 4+ Aok 2y o] &
4g AH S de 29 52 T dod9 A
ol H4 Sl= 797t At

o =3 FET g BEAAE getry] 98 dxY do}
o FEE AMEStA Zh oellA AEA wEEleEA|
= #7HE s dAEokee v ey <
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oldl zhekE 7ol HEo] SA4HAT dREol: T

o) et7le) 7HY wol Hgol B Aow Y FHE ¥

o AEE AT

7} w720 2de] emulation 23}
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19 613 Zo] 2 FEE HYE I A
a3 4708 comb delay linedll A sz wig]= &o) o) &}
o notch AYEL vdEFHoZ Fo] AYHE & F

7} A

10000
8000}

0 0.2 04 0.6 08 1

(1Y 61 #2019 YA
. 7=y 249 9] emulation 2%}

7t=v 9] allpass delay 92 &2 delay lineeg %
28 Edol sbsstel Wuy Agol HEHYL T
g = Ygden, 435 nested Hol comb delayo] A
W uAFE A $ES glon, dAHew AR
BoFnt. a2y &2 delay 21o.g Jsto 1
o] HMAHo 2 Hokow, Zt delay lined ZA &)
AELolE gol FUE de wFsol UF Fus)A
F71 w3EE ¢ AR

ke

HY

©
sH

ol o > rulo

g 1
Time (seconds)

0B

(2% 62 7t=uie Qg
#20 mdd bjse z7)

ATk et Mvmr
e ofrlde
Agolict.

g -z
ofl iz I

2
@ o

2 d 9] emulation 43}

B A7 Aehe mdg A8 7] 95te 7tape] FIR
TFRE AMEER o9 2 AlSgte ®6.1S HEBI A
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9 5 A4 A ZHms) A+(g)
0 19.9 0.818
1 354 0.635
2 38.9 0.719
3 41.4 0.267
4 69.9 0.242
5 74.1 0.181
6 79.7 0.167
(361 2713F AAALH o] 53
T8 LPF RT(s)
Small Room 4.2KHz o] 3} 0.57
Medium Room 3.5KHz o]s} 1.29
Large Room 2.6KHz o] 3} 1.5

(& Eoll Mo ZAZET A 8§ LPFO F54)
AYH 2 2¥633 o] 7] WSS F md S
< stged, w209 B nge o] A¥HY Bk
ENS RAY. F7] A% wAS os HLd nested
allpass delay line2 XA A &g YT & FoFo F
3 &S 44T 7 Ao

(o]

10000
2000+
€000
4500+
2000

313
2000
-ADN0+
6000} ‘

30001

¢ 95 1
Tirae (seconds)

zde) d8a £ )
E4 gohry] skl 164
542 delngoh odrldME

=
Fholq Bes AZSHS

Amplitude

15

(248 63 AU =
taE B9 3% 89
3 el T 47
allpass delay line2 Ful4

HoAES 45 AU

=
o
=

o
=

Spectral surface

FFT 512
Frame® 23,22 ms
Overlap: 102 %
FS. 22050 Hz

(1% 64 B AlzEle) 3D

A 73 de
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o8 Az o
A s }S\’iﬁ}v AtE =d e
Zd 9} 7|2 A o] =(cascade

£ loopE 7§43 modified nested
ARgste ARR-2E 8o 88l &4
OAEASZ A ZZHA(DSP)e] th-E2E E= AlF g
S W3lAA A8 7HA F2 e EE AAR 7S
g 5 USE BYD, AAE PR VEY Fxe vn
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allpass filter)s] &
allpass filter&
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g tal AFHQ AP AT & EMNEES
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o 372 A% F44 FLol KM% AAEE 9
B g% 5402 28 siyon, 9 TAR
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S AEEE AFSET 2 $2 Ay Xy g
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