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2.4kbps MELP Vocoder with TMS320VC5510 DSK
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2. 2.4kbps MELP E3{

2.4 kbps MELP 23t HFAYD LPC w40l
)Y Ao, g kHz2 AER Ho BMZHY 3
225 ms®] ZHolg erh 71ES 24kbps LPC X 2T o
M A8 g Wt F7138 dEadoly Batse
#49 ZE9 A47INER AIgHeEZRN EAA HE B
A5e] €8 % buzz), B A P(tonal noise)5 9] BAF
228 48T AA EE APAA57) A8 MELP
BRoE e s571A $3el FFHEATH2). 1)
Mixed Excitation, 2) Aperiodic Puises, 3) Adaptive Spectral
Enhancement, 4) Pulse Dispersion Filter, 5) Fourier
Magnitude Meodeling.
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Et@ Lol A BE BF (bits,

Parameters VYoiced Unvoiced

Pitch Index 7 7
Aperiodic Flag i 0
Bandpass Voicing 4 0
Gain(2 per frame) 8 8
LSF 25 25
Fourter Magnitude 3 0
Error Protection 0 13
Syne Bit ] 1
Total Bits/frame 54 25
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3.TMS320VC5510 DSKE O|&8! aAl2t+#

3.1 TMS320VC5510 DSK 2 Jgay

TMS320VC55102 TIALe] AAE 2T 29 C55x
AQ9 DSPZ 200MHz2} ClockolA H)
400MIPSY A%< 7HA &, 7222 17-bit x 17-bit
Multiplierst  40-bit®] Adder, Non-pipelined Single-cycle
MAC(Multiply accumulate) S22 TFAETD, Uf
64kbyte2] DARAM3} 256kbyte®) SARAME 7}A 2§}
£ Q7oA AHE3 DSKE /&Y JEHTHl2E A
AIC23 Stereo Audio Codec® B33lZ DMA (Direct
Memory Access)Z A@gt) w3, B =Afo] §Mbyted
SDRAM3} 512kbytes] FLASH W23 & 7Fxa e,
71802 16Mbyte2] 9 =] Fo| 753HcH4)
A2" e 98 LZEgo] B2 CCS (Code
Composer Studio)(5) ver 2.12.072 ©|43d TZ I3
Debugging % AAIZ 24& FYPsAdt.

2R&EH

3.2 AN HEE A EHES UF U JABIAD
MELP B3US AX7t F¥L DDVPC (Defense
Digital Voice Processing Consortium)oll A A|#&} ANSI C
MELP FEE 7|wez sl $8s%ch
TMS320VC5510 DSPll £987] $3 9% 2= 73
R ¥ AL g 2o
1) 2236 326it2 M2 HE read, write blockS
16bit2 A8 KA &I, 60 Hz ©[39] de ARE AASL
+ 24953 9y 5 329 ARNA HFE 2713
=g F33Ut
(2) 223 BANANG Edo A4 RIS 42
ZES BE flE FEE Fol TP :EMA
A 2] g At
(3) MELP Z=7} E83l: & ETSIS 7|& A&dit
&2 TMS320VC5510 DSPel 7+ Eg¥os F4d
intrinsic ¥+ 2 tAlslA .
@) cCslA AFsE Compile optiond Hi@ ¥H3t
o 2¥8Y 2= AEE Hid sigen, 3PP
32 inline FF2 WA 5 tHs).
(5) MELP &3 Ed X3e F2 Gt fAeAe 2
3 Clock % Fol71 9 &=  AdE%(unrolling)
2 22X Q(inline)3-F B L3I, loop trip counter
7h g A, FZ URe 44 3P ¢x 3xF 8

o for €2 A& FHagsisioh
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e 2e HAH3} AAE St TEE MELP 24
255 Aladde] J%e BoEs] s Za2ade A
YL ARSI ppgol +I5=d LY Clock
& FAs%ey, zz2ay # delH PRy FAFL
COFF link Al A # Memory map $Y & F=xde &
Aok, ¥ 2~ = MELP ANSI C 223=¢ HH3}
o M3 @A A9F 8 ot BEETNE v
289 f4L, FAE D Ho|TLE X¥E A dlol
BHE ogdid dzgd 3 tzd A4 ZAd 2
W2 228 Clock 8 339 AR, £33
& A (D3 Fol AT AR AHE ZF v
A A3 225ms T THYL full-duplex ZEZ M]3}
b 6.6ms7t 28 E ATk E£F, AHEHE T2y vR2E
g} dlolg o= A7 ZF 46.5 kbyte, 57.9 kbyte
2 Jelwg

LG FPAZ = H Clock F X 1)

1
200MHz

® 2 4£23=0dH 28T @ AA 2B [clock ]

sy Al &2 2E | 2H8% ¥ AA
Encoder 32229487 31325440
Decoder 12137859 11972352

Total 44367346 (221ms) | 43297792 (216ms)

E 3. HH3E 2AE 2 [clock T)

L s o

vr [Pome st D9 Lys s
Encoder 4315963 960447 960441
Decoder 2006938 371631 366090

Total 6322951 1332078 1326531

(31.6ms) (6.6ms) (6.6ms)
E 4. HAH3 AFe| HF AH [clock F)

Liats QA 22 S Az}
Encoder 32229487 960441
Decaoder 12137859 366090

Total 44367346 (221ms) | 1326531 (6.6ms)
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T skHzE MEH3, 459E 44328 DK 4
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Aoz 7dEE HAsqUch
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