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3% 6 SIP S/W PHONE-TO- PHONE

INVITE sip:10.37.1.202 SIP/2.0

To: sip:10.37.1.202

From: sip'test@10.37.1.201;tag=3305160848
Via: SIP/2.0/UDP 10.37.1.201:5062
Call-ID: 1021212410@10.37.1.202

CSeq: 1 INVITE

Contact: sip'test@10.37.1.201:5062

33 4 ol& % Mobile IPoA{el SIP Content-Type: application/sdp
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Content-Length: 251

v=0

o=test 3305160848 3305160848 IN IP4 10.37.1.201
s=Calling User From Hughes Client
c=IN IP4 TEST

t=0 0

m=audic 2074 RTP/AVP 0
a=rtpmap:0 PCMU/8000

m=audio 2074 RTP/AVP 3
a=rtpmap:3 GSM/4000

m=audio 2074 RTP/AVP 5
a=rtpmap:5 GSM/4000

SIP/2.0 180 Ringing

Via: SIP/2.0/UDP 10.37.1.201:5062

From: sip:test@10.37.1.201;tag=3305160848
Call-ID: 1021212410@10.37.1.202

To: sip:10.37.1.202;tag=3391475848

CSeq: 1 INVITE

Content-Length: 0

SIP/2.0 200 OK

Via: SIP/2.0/UDP 10.37.1.201:5062

From: sip:test@10.37.1.201;tag=3305160848
Call-ID: 1021212410@10.37.1.202

To: sip:10.37.1.202;tag=3391482848

CSeq: 1 INVITE

Contact: sip:paul@10.37.1.202:5062
Content-Type: application/sdp
Content-Length: 246

v=0

o=paul 3391482848 3391482848 IN IP4 10.37.1.202
s=Answering the call

c=IN IP4 samsung-481ulvt
t=0 0

m=audic 2074 RTP/AVP 0
a=rtpmap:0 PCMU/8000
m=audioc 2074 RTP/AVP 3
a=rtpmap:3 GSM/4000
m=audic 2074 RTP/AVP 5
a=rtpmap:5 GSM/4000

ACK sip:10.37.1.202 SIP/2.0
Via: SIP/2.0/UDP 10.37.1.201:5062
From: sip'test@10.37.1.201;tag=3305160848

To: sip:10.37.1.202;tag=3391482848
Call-ID: 1021212410@10.37.1.202
CSeq: 1 ACK

Content-Type: application/sdp
Content-Length: 234

v=0

o=test 3305167848 3305167848 IN P4 10.37.1.201
s=Anyone listening?

c=IN IP4 TEST

t=0 0

m=audio 2074 RTP/AVP 0
a=rtpmap:0 PCMU/8000
m=audio 2074 RTP/AVP 3
a=rtpmap:3 GSM/4000
m=audio 2074 RTP/AVP 5
a=rtpmap:5 GSM/4000
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