2001 140 CREBLFESMAE FHXE F14% 1K

MPEG-2 AAC Y=

AFE, AA2, A4
FddEgn A7)

]9 DSP 7@

4, JUT, 45

R R

o B AT

DSP based implementation of MPEG-2 AAC

decoder
J.H.Jeong, J.K.Kim, J.S.Lee, T.G.Chang, *H.Y.Jang

Department of Electrical and Electronics Engineering, *Samsung Electronics

Email : tgchang@jupiter.cie.cau.ac.kr

a o
B =R A= MPEG-2 AAC t=zZue DSPTE
o #3 AxAxzA, ISO/IEC 13818-7 ol o7

&
fr

8% MPEG-2 AAC tlztlel 7zt 4% 7)58e 59
T4 2 Exded st 89 718k, DSPAAL
ZHge dattze dTE B oRE 16bit A AT
¥ ARTEE M= DSPAeA %‘fﬂ% MPEG-2
AAC 9 ATE9 o} FA

Frje] Aj2E9] =40 ¢

o} zteRsk 7lEstgioh ?M% darel 453
st} MPEG-2 AAC MEAEZL ags
ete] o &y didE F 4e WERY FE F
Az 2 HEQ £49tE sy
gtk F@uH o 24 conformance testo] 2]A3 S
PSNRE =Azozn A@AQ M g9 AAe

i, Fede o8 WohE gastd Fgstac
1.4 &

MPEG 2 AAC(Advanced Audio Coding):= ©hall g,
2.3 IYEFo EAoT QEto AMHs} HA
o ]L Qe gAY M gHEFEolth. MPEG-1
207t 128kbps ©Y & 2HEL Adey x4
st ¥)sted, MPEG-2 AACE 320kbpse] HE4&E
oA 518 i 5% F4S YT £F A
A A AEol Ajokol wal Main, LC, SSRe M7Fx] Z
z3de AFsa, ADIF, ADTSS F71A =Zdy 74
BYE ATGoRA A2 N2 Fdol 5o

B =FolM = ISO/IEC 13818-7 & oA F+
¥ MPEG-2 AACH MY 7I5EHES S34dE £
¢ F3ted 52 tay FARAE UG =@
DSPR4tel  HAzE QAT dATFE NP L=E
16bit 2F2FH AUTEE 7HE DSPRAA A
7+ 53 7153 MPEG-2 AAC UEWE Fdsiz
ZHg gelsigith =3 FEE tdage $AHIE 4
8led ISO/IEC 13818-4¢] 7]{&o] <A, Conformance
test® £F As#E #3554 (1](2]

I F
15
A

N

2. MPEG-2 AACH ZH 9 T4 %2 s3dd

MPEG-2 AACY F83% ¢4= 2 E]" Q17+ Azt
A& n8d MLt Y(psychoacoustic model)ol
7% 1 gk MPEG-2 AACS) 939 #4% o
o Hole 4HE A8t FAAM o|FolA =
o Hzt AeRR e mste] g Fg £
=

2dgozd 4o &A% LA Fe

2.1 MPEG-2 AAC Y =zZH 74
2% 14A= MPEG-2 AAC tYl=d e g #A
ZEEE Yedx 2l

g > Noiseless decoding ...
Data v
Control-9» Inverse quantizer

v

Rescaling -

O L T L T ]

M/S. Intensity
decoding

r:‘> Bitstream
demultiplex
P Prediction

MPEG-2 AAC (Main profile only)
bitstream *

Lp . TNS

v

Filterbank
(IMDCT&Windowing)

\ 4

Gain control
Bg (SSR profile only) 16b1’t
PCM

2% 1 MPEG-2 AAC d3EMY 7|5EHx

- 481 -



ISO/IEC 13818-79] EFo] e} ¢&8 dolg:

s R 71e RoPE R wet gagg s3sA gk

Noiseless decoding®AelAE F2 X9 tjz3g-&
gl T FYRHNME Foge g dol
B 23X 543 EA wet 11749 M2 gE =

o HolE F HA9 Holgg Ml Algerh
wRog I 3P FAHL I FPPH wet &
85 E tzg Alzte o)zt of$ At B =FoiA
= olAEY Wy 7|2 M2 I tlmY Wy
& =yFoEM fagd Aty ©F ¢ 498 WEIE
Hx3elEE et [3][4]
Inverse quantizerdlXi AHEH dolel &9 &
ZE mdsld )T Zol wjdY SAEE FAIF
t}.

4
x_invquant= Sign(x _quant)x x _quant®* (1)

ol BAY YA FLE scalefactord HEh=
rescaling® & 3}, TNS(Temporal Noise Shaping)=}73 il
A g AeE Z2EIY ARE Fag GIelA,
ZaE AZE ggelM 47 gt Ao EXE 2
st 488 3%t} Scalefactor BA52 FHF49
1A dlolEHEY ARNIEE HZ U F=gEo 4F
& gt

MPEG-2 AAC €% CPE(Channel Pair

Element)d ZA$x #H/$E 29 daAdE 338y
a&g sz AFFe AL A(2)9 #Hol F 4
39 &3 A2 ndFT M/S(Mid/Side)ZHE S, uF

o} A& A@)F Zol FH/FY &9 Avid AolE

12 % intensity stereo ZR& FHF},

Al

r[gllspec] = scale x I] g][spec] 3

o]
Z
>

Prediction 71% &8 <2 Main profile 5% A}
£5E VsEdozA AIEAME ZHYE

AEY dole g FAMS o]f3te] thg ZH Y 4
ZAl59 A A3 @A MNZE '

My o] AarE2RE dNZTE HYsle AHFE +
et

Filterbank 7]5E9& 34 499 doldHE
AN7rdde]  diojelg W3 A7]= DCT(Discrete

Cosine Tramsform)@A = B @it gel A A&
B2Ez7te) BA&HS AAS7) 9% windowingS F
et oju 2o Ao|F7hllA BAEE= pre-effect
A4S Zol7] 98t long window(2048 sample)3}
short window® T¥3t9 H@S F3Pjc} o] filter

banki= I H L&
HA A4 dnEEE Y5

Gain control 715 &3¢
AMRE S vlsEYH oA ZpEXl MEH
2% 5 JEE

2.2 MPEG-2 AAC "2t ¢ HAHAL Az
s T
MPEG-2 AAC Hzt 9] 51&5} = rdsEe F
7HE A AR 4o viRe) Z4E AF HH3)
ALY A8 ¥ A FUVE %A}i}ﬂ eHE
2337] A% HHRE FEE 5 A
¥ wgdME A (@9 gt ol ANRE &
7] A% Al g AW FAAY V1Y A
oz A&EEY F7he vEo] mRe &

[}
S
88 HAi3 T 5 YRS G
x _rescal = x _invquant x 20357
= x _invquant x 2™ /DD (4)

= x _invquant x 2971 x2¥Y"%

= x _invguant << (sf >> 2)x 29"

. % 04 Al ~24 ~34
w 297 520 2 224 0

FEBE AR s
3}+= inverse quantizer?] A3 ¥
=7b o) g- FasAH Y, filter bank-4
Al A dito] ddtd AHE }\—‘ "S%
Aol glo =X 2HE HAE 7‘3‘”0} A A

A& JYehEE &5l

3. MPEG-2 AAC Y24 ¢ DSP +&

2 =RdAi= DSP7Iwe AN 52 sl5e
MPEG-2 AAC H2aY Alx®& Fdsm, sz 2
AeAes s3B8gch
3.1 MPEG-2 AAC Y=Y A2 3§

Y 24 B dFM FAF DSPrIntY
MPEG-2 AAC Y129 Al&®e =g F4& g
d BEEEE o] g3t JelATH

A2 AL 93le] 16bit TALFH ANT
£ 7IX|& TeakLite DSPE 7]4to.2 C]3Y A|4H
Tdstglc. tA £AE PCE MPEG-2 AAC
te) Aoy € A4 DSPE T2 theze
Hata, day £8 Foi= DSPY AR 2EF
AHE 2UE P, 340 2 AugES geF
= 988 533} voly 2E PCE DSPEHH
9] dlole &% AFel 2Fo] MPEG- 2 AAC HEA
EYS /O EEZ E3lo DSPE A4dles 948L +

O}ﬂ mlm o g
NGy Rt BN



Debugger Host PC DSP Evaluation kit
interface [, | 16bit DSP D/A
card i processor Converter ;
Debugging
S/W GPIO
N

e eitistoes o oo et USSR I GRS MO

Transfer
S/W

E
Data transfer Host P‘C
% 2 MPEG-2 AAC tlZd 9] st=do] FAR

ol aHNFe] £ 9 dojg HEeAAL UH
HE A3 oste FALGe 2N, JeHHdS AF K
28 EdozM 483 528 Y & UEE @k
4 DSPolA3= dlolE] FAE PCERE AL n
E2EAL AHgstel dzge ANEy, 44 oY
2 ANIE D/AMBIIZ HEFoEM AT HIYE
F 3381 A €.
3.2 MPEG-2 AAC Y329 Z=21% F4
% 3& MPEG-2 AAC ©l3ig T2 A%
552 dehm
Initialize
Frame data
request Frame data [
request,cnt=0
v
t no
Transfer g Frocessing @
S/W .
| Input yes
. 11 buffer ¥
v :
; : Double buffer || Buffer | ||
I/0 port - 5 switching control
|
né‘fa'gffégﬁf Input y —
Host P interface =
0S D/A converter P cnt+1
\
Speaker DSP dedicated assembly code

1% 3MPEG-2 AAC YlZH AZES FAE

Uzg ZTzafde] §3 A3 g4 DSPe vix

2 2 /0 74 % D/A ¥#8719 2758 SR
EE 9 2 R 955 2rise @A £

ad & DSPelAl= dlolg ZAE PCHoR
FEst7] A% PVE2EY HolHE 2% 3r)
= DSP¢} 4dZ2% GPIO(General Purpose 1/0)
Heole] $2E PCe I/OXEE AgdU.

|8l 32E PCEoAME dolel 83 JEHENT
o whEate] g dHolEE JOXEE o|§sld A
£33, olg &7 diolel A4 JHUE AEE B
ot DSP= 4EH | woleitd BELEHE o
1

3l t3EY S F3F doly M JdHHE Atz v
St QAHYPE 1‘11" FEE F3sta, 4 9y
Hol Hgd ¢ HolHES ‘P‘]'UH:} a3gd Fol=
o] ¥y w©iy 51 HEXEH E‘“"]H% FZ3td o
Z3E YA do. deojee] £3& double buffer

AEEELE
D/A M&75e2

switchingZ| & Al&3l=d], R v‘:~

FE ohaiste] shbel Mol

©=9g vhl 16bit POM eHle dolEl§ ddstol
~AE &8¢ $951, G2 U FLwdA
= Uade od dolBE Adae 34e sdvg

g 2Hde A D gadol Ed T E¥Bne
2‘:12 Azl AGAHE, 20 AT YW=

gz 7 e WL 7 e 7lsE wEsiA "
Tl]—. 19} Zo] double buffer switching 71 & =%

oM g #83 =y A4 A FAgez
X ot A% &9 F &9 ©A glol Aol AsE
S sqch

4. T2 3

B g M= ISO/IEC 13818-79] #& 71& 3t
o FA®E MPEG-2 AAC tzule] dxzsg 2 MIPS
28%& HAsta, A4 20 dHolgy & HI
g 234E gkt 7isetsich

MPEG-2 AACE Z2AMY A% € X4 715&

Wxgel 77| wat Main, LC, SSRY A7}A] * =3}
4o ™ol sttt B =&olA o2 d DSP=
o) 100MIPSS] A5 7HAz glon, zdss
¥ w22 64kbyte(HF 20kbyte + ¥ 44kbyte)
ojth, B =89 AAFCl= Main ¥ LC T2
tyzgo] sbEsln, DSPrIwte mie LCEZ2dde
ooz T3

E 1914+ DSP7idtel MPEG-2 AAC ©l=tl¢]
gas £22%¢ Jehda o Bgdd D]it% ==
aBE A8y ¢8 Fe 3.6kword, TR FA
5 4% a5 2 42 HolHEY ARE A4 ol
2] ﬂﬂia 748 35.6kword’t A8FHd F
39.2kworde] vlxg] F7to] 28T HIEYE ¢
3 MIPS 42838 3gd vlE A 74 2 ¢
ZRE, AEY Fo5o g} Be Aot wAsE
44.1kHz®] WEH F 39 96kbpsd AEHE 71X
= 2L A NEAEULS Oagr HF
28.1MIPS7} 28 H AT

2

_483_



# 1 MPEG-2 AAC HYzTl9 dire % Ao AU

a9l W28 (kword) | A
Nees Program| Data |MIPS)
‘bitstream demultiplex 1.1 0.3 2.4
noiseless decodig 0.5 3.5 2.4
inverse quarntizer 0.1 4.0 1.2
scalefactor 0.1 7.4 1.2
M/S.intensity coding 0.2 0.4 2.4
TNS 0.4 1.7 -
filterbank 0.9 13.3 18.5
1/0 buffering 0.3 5.0 -
total 3.6 35.6 28.1

2t g3 YdME 28 au %_‘1'& o}
2 tdady Age AT w3 oS 5 Qi
slijoltt B =M= MPEG-2 AAC q:n:ﬁo A
HB7t 71FQ ISO/IEC TR 13818-46l4 AA| &= 7]
o oA ABHslE YT Hz3ny 4se
(5)9} Zo] HF SNRE &A%,

/%idiﬁ”(n)z )

of 4g $¢ 45/ ¥FHezmE o> 1
2|3 x20.5
24 #H¥ SNRe| 100.3[dbjo}’d& wEstefof st}
w3 dagy AA F95 1bito]dhe bit erroritol
E Azt ofF gt
ASEE 93 Bagid o2 MPEGAA AlF
ﬂ’\E HEXEZD B =FdA A4 vzH
i A" PCM 2t]e Holg& FFEtelA Al
417}*”’ o] &3l Hiw ¥ BEFE FyPsigict
= % 29 22§
08[db] 16H]E 1%
dble) 285 & F AN
conformance testg
A25E dds §8 92
[e]

23e & ¢ YA

> dN ool o

I

[

-

ot rlr
o

o
F\T

il

[

¥

L ,jgi

N
—_

oL 0

[
kR g
:rz
B 4
HJ
@ 1o o
%08 oo d
o

<r M

o
o
3R ¢

1o 42 o o > o ok
ol 3

.Oﬁmﬂﬂ
-1°~_|°ruﬂ
5
it
>~
)

2

S

2
b
2
o
K
>

._.
(o)}
=8
=

[ H

2
S
mo‘r
f-?‘—" o....

® 2 MPEG-2 AAC tj=t{e] PSNR &4 23

Hzg s | PSNRId] OE
floating point}fixed point
testOl.aac | 109.10 73.29 ADIF, mono
test02.aac 108.44 62.63 ADIF, mono
test03.aac | 109.38 73.57 ADIF, mono
testO4.aac | 108.42 79.27 ADIF, stereo
test05.aac 101.63 84.21 ADIF, stereo
test06.aac | 108.29 90.43 ADTS, stereo
test07.aac | 106.18 91.56 ADTS, stereo
testO8.aac | 115.55 92.12 ADTS, stereo
test09.aac | 116.09 92.07 ADTS, stereo
test10.aac 102.11 88.41 ADTS, stereo
2 108.52 82.76 ~

o} AAZE E‘—Lod ngo]'ﬂ s )\]’\F’“«] o}-
% aZEdolel 4 R B3Pl dhstel 7]
=3

ol [y o 2
i

16bit P4, AAT2E 7HA= DSPE 7|t
o2 tzZY Aag FHEAT 28 1MIPSe Asrae
A8 % 36kword® Z2IR  Wrgy I
35.6kworde] H®lelE wlEg FTre] 289t =
1:1=/u1 Mz %23 @y 71&9 24 HAE Ay

F4 ANTE H84 108.52[db], THL2FH
T2 H8A 82.76(dble] PSNREHoz 9&%%
¥% "}E}ulo‘_‘ltﬁ 7o o9& FE e
HE FEe $HE #4E AN
7Y A 2we

¢ AlEsse ael AF U9 o

4 b

23 o
\a)

Ml i ol K
fog I

et

o

_9(_,

-

¢

H 22k rE (iN)
2
ié:,
ie
lo
a
o
2
He
S
Hy
JQ.
P>
N
Wy
o
fz
2
N

A
el oo gt

A28

[1] ISO/IEC JTC1/SC29/WG11 N1650 "IS 13818-7
(MPEG-2 Advanced Audio Coding. AAC)"

{2] ISO/IEC JTC1/SC29/WG11 N2201 "ISO/IEC TR
13818-4, Conformance test”

{3] J. H. Jeong. B. I Kim, T. G. Chang.
decoding method based on bit-wise comparison”,
[EEK Summer conference, Vol4, pp. 131-134, 2001

[4] S.HO and P.LAW, "Efficient hardware decoding
method for modified Huffman code", Eelctronics
letters, Vol.27, pp.855-856, 1991

[5] P. Duhamel, Y. Mahieux, "A fast algorithm for the
implementation fo filter banks based on time

cancellation", IEEE, pp

"Huffman

domain  aliasing
2209-2212, 1991

[6] A.N.Skodras, "Efficient computation of the
split-radix FFT", IEE proceedings, Vol.139 pp.60
1992

_484_



