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Fig. 1. The concept of acoustic echo cancellation in
a hands-free communication system.
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Fig. 2. The cross-correlation of input and

estimated error signals which is estimated by

instantaneous gradient estimate

geld H$ 27l g A¢E tda 3A #
ANEE s Aol Hasit 43 ARE,
S(RE 4 (1007 o] AY B ANA ¥ 2
e 4 A4S A FAFo=A HE UH
o £3 £T7t =¥AR] 4=E 4
calB)=Bc,—(A+(1—H s,k . (10)
A9 FoE (BT F3 ZAgo ddA Hg
dg9 Asrt ex2AHA FEE 3] A
1% 98 AEe £ o4 NS AY Fou
A (119t gol A3l ek

dc, (k)|
L(Z (R + ()

n=0,1,,L—1

Uk = (1D

UBe A BHe 2 9e AAse AE 4
s WEolL ¢ & AFH A A5l c (k)
7t Ug 9% A3 FBECT 45 FBE

daA Auge AsE A AL A0 B
o Holxw BN BRol o]E WA
A% Aotk 9 Ase} 24 23 A5 WY
goz Fisas RAe A Axs F4 oA
Azol A Hg A47 AFAE Ae Fol
7 g Aol

s
o

- 126 -



2001 st=HE|0|Cjol8s] EAYSUECRY

4. AFE AEFGA A7 ¢ JE

&3 W AA MBS AN §4 Az
2 8kllz, 16 WEZ %xpstaled urabxiet dw
Aol g4 Aze AEEHAT. AL dHe H
o] 1024 & o) &3t 19 3 3 W A
A Aol Aztelrt. 13000 MENA 16000
AE Aol FAEE Ado|tt A ¢stE A
$ gmelEo] NLMS gzl vlsiA 4%l
2423 530 Sum-LMS gz Fo] HsA

0 5000 10000 15000 20000
samples
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