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In this paper, implementation of speech Recognizer
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system, Separated from Personal computer. By using
DSP, this intends to extend the voice recognizing,
limited into PC because of amount of data and
calculations. For this performance The thesis uses the
real time End point detector and organizes no
additional device between human and the system,
characteristic vector are that detects End point and
voice from absolute energy and ZCR, that uses 12
difference Cepstrum from LPC, that uses the method
to compensate the process of pattern separating and

pre—calculated standard pattern limitation.
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1. Initialization : Da(1,1) = d(1,1)m(1)

2. Recursion
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+ L((i'x,0'), (ix,iy)) ]
3. Termination

d( X,y)= DA( Tx, Ty)
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Boot-Loader 000000h - OOFFFh

external memory 1000h -
020000h - O27FFF
external memory TFFFFFh

Peirpheral bus

Memory-Mapped 808000h ~ 8097FFh

Registers
RAMO, RAM1 809800h - 80SFCOh
external memory | 80A000h -
900000h - 9FFFFF
external memory FFFFFFh
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