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6) DSP part :
- Clock Rate : 160 MHz.
- SDRAM :16MB*2EA.
- DualPort RAM : 132 KB * 2 EA.
- FlashROM: 128 MB * 1 EA,

TMS32006201 DSP & T}%§ 3 E AL 711 Yed,
of RE T AL HiEy 9 A€, F2 0x0 9
Wz e ME @ RE xagre MAL T
E =RqAE= MAP 19 W=z §L& AlE35t1 DSP 9
gy mZzod Yd¥e FA 0oz v HPI RE
A28 AMEE7] 98 BOOTMODE[4:0] #<
00111 & A¥g&dct

DSP9 TTS ZEE 2|A ¥ T2 dole % DSP
A 2ele 2713, AJEHPE A, Z+ Agd g3
o 27188 ¢AdoR F5dc) oFA X718
* MPC860 o] AlZ WH o HAEE diristn Yokvt
AR 7 eAEE AR FHoz &4 FAT olqA
A" LSS JHIHEC o8 AW XEE F
Al 2Elo] TDM(Time Division Multiplexen)22 A5 o]
D/A(Digital to Analog) & B=o|A AALTH11].

_499_

32 @ Ag AN 74

TIS o] AAZL FHEE f8M ¢ 222 Hol Y& TTS
dze BAE £ FHHEsiHok. TMS3320C6201 DSP =
oW zmoyh Uy ol oEd SAE o
#HHo HBg WIHSAT B =E9 TISE =HEY
Av] @ AMgEHE AR o] ostd oF H=E
Bo] AMgEIGITE R R Aoz Q¥ A
&0 e 47 93 DSPo T2 aW REE Cache
Enable 2 8lQa, W@ Algoz &£xd & 4%&
F= 8 2 8HE Addsid Uy dolE HzEs
ggaigiet £, B =EdA AMEEFY 1d 253
DSP & EF AFAd A B A AL ¥8E
stoz 25 2543 dHe @9 2 AAS A8,
G711 EEA  ®HolE  AHsigoerd, 45 dxale
ALge HAaBEo A A EEE3Ach

DSP 9 A7 ¥¥HL HAYsY HAnHo=z FHE
TIS o} £5 74L& 19 49 204

DSP program

o104
F Hew P

[ il 24
o9 [ o
gﬂ.kﬂ*ﬂ} i :
% H

_";?l_ 2

erd GIoIE
Holg

% 4.DSPY) T+-3E TIS & £2%.

F APRE =2V 27 FEAN F WEFES
Z7)88t1, TTSAF H3E FARE F 5 Aol A=y,
AE, §4 dole HRE Z&dd HAA 34 ¥4
FAL z2HsE AL dot F 259 MPC860THY
Az B4AlE ©F3sE oAx AgRE  DSPY
Elojujo] o3 e, F Mo o s2d Ao
APREe 2% d9= o] A& su, FHF=E
29 delgE Agd L AA=E Ao
olg@A AAY §MLE Dspe Y TEZ HAE: ¥
Aol HEE AL 8T 9 Ao o, A=
AL AANE d2rrt HEF FA4 doly Hrd

o8} Aoldy.
TR FYFAAE A4 HEE 2 HE Fo A4S
AYA  BAFez  ARI}ES  HRT. olRL

FAREANA TS st g wEd NZF A
JEIFPEY o3 TDM o2 dHojE A4L st AL
stm Yge W, ©E WEE FHSS AR
Aaiolct. & & wme Aol EF AYHIUE u,
diole] ERIEIE o|FAIAH FAL APl ¢5E tie
HHE A=EE s FAHL dEsH AANBHY
H2E & £ YA o

E =RdMEe HAA AgE s & Mo AN
W Z71E 2 Z(I6KB)I &P A7IE T©IEY
AFgstoich ol mel AR E A4 ¥ ar|wgF
A4 F AN wHd dHoleE AAFstm, #AS



Y5 FAZol 2 2 TS ANE [ AN ¥y
angkg oA gAse 7RE FAHUT

33 gAgd 3

F4E 28 wwoz oAd e &Y A9
Agdz HH@sol ste FAuY Hole g B4t Ad
Az @38t AddE AR dHolEE <|&Fd
gAd TISt© &4 Ade 4 &95 HskA %=
wcaAFozZ TIS #HAEL AANRZESZ +3yjit E
E=AE 29 59 Zo] &3EQ TISHAHE ¢33
o, 3 Adeitt Hd Mgl Az 40 MHz F5(=025 &)
ool 2 & ojde FAHLE AAH AN HE=
HolE & BAE & AYMEGEE st 8 Ao AAL
TISE& TE33v. 8 Ade gFoz 3, Hz
Adol A TS &77F Y& & miAT Ado] SH3}7]
7R & Ad T A 025 29 Hg Agto] FAHHo]
Ao 2 29 o] Futdn}.

o 25eC_ i 2sec N
)

Timao

0.25sec

ag 5 oAd TTS Elojd=
IV. A]2" AX7E g2E

2 =794 FE"E TIS HEE LGAREANA
AZd VIPS-HD [(Value-added Information Processing
System — HD O[11])°] &3t e]2E31%c}h VIPS-HD
OIE 98 AZE 4L AHgAA E8FE audiotex
A2, APEE i ARlRA S4HY, #Hx
Hdg Fu ¥e oA Aux2g 7Eor AFstn
a9 AFREYE dFAA Z2E AFEHY dHoly
Hlolxo] YE #AF FRE 4 % H22 AFH
03¢ &4 ZaAY AMu2E A3 T Ao

oAd AAIL H2EE {8te], AlAH9] MPU-D(Main
Processor Unit — Data processing module)E TTS HE=9} Z
Adz TIS 3R "d2EE FAd 48 + A==
Z2a3RE TSRS 2" TIS B¥y HrEg
FAgg £ Z+ Adeig AAztdoz @4 2 AL
FEg i, S4E 29A0M YexE ZXso
AR H AFE gAsA suth El2EQ Algg

HAEE QIHY AAgd A& ojuj 9]
HAEEL FAY=z HE31500

MPUD 2] A4 $41F ZE Ade] AHHAE T3
S48 AHs FY FAEL dAsAE

16 KB

V. d&
A= TIS €u8ES 16 BlE 1y A+43
DSPQl  TMS320C6201&  o]g3] oaid AN

TEsgen, A=z &4 A Hob Muja Al&"Hd
HE ez P 83 7 TTSE A3}
9L E3 9 40 MHz S20=2 A9 2 2 29
FAHE AAPIEE Fod, ALd TIS BEEE 5 A9
DSPE AlRste] DSP F 8 Ad¥ E 16 AL
FE&39T AF 23, EE AddAH AAgFHos
A Ao FRFE FAFAL

2  E=RdAME A7 nAH A3 DSPY
TMS320C6201-8 AL&-gov, HZ9 TTSe dx2Eol
HMM® Z2 55 253 448 Bo] Algsre
A& B Fo] & o, TMS320C67xx &2 BF 2%
DSPE THSE o] H%¥E AL Aoz Eo
T3 ul8Fe] DBE AlgsteE TISE DSPE F&EE
7% DBY A 2 Algd F u] L& G7E g9
Mg FAAE Rolg gegic

IEH

ﬂ}#

[1] Thierry Dutoit, An Introduction to Text-to-Speech Synthesis,
Kluwer Academic Publishers, 1997

[2] W.BKleijn and K K Paliwal, Speech Coding And Synthesis,
Elsevier, 1995.

[3] EHarden, “High Quality Time Scale Modification of
Speech Signals Using Fast Synchronized Overlap-Add
Algorithm,”  Proc. ICASSP. pp. 409 -412, 1990.

4] AR, oIES, AAE, olFM, Ay, “gol
-4 HE8 A2"dAe & A Al 133
484 2 AzAE A3g =83, pp 415418,
1996.

5] 1%, AR, R4S, oA, B4, <R
$4g o8 @I BFeH W A2W A
133 484 2 AzA= 43% =83, pp 237-
240, 1996.

[6] LG Corporate Institue of Technology, TTS /L &3
B34, 1997.

[7) Texas Instruments, TMS320C62x/67x Programmer’s Guide,
1999.

[8] Texas Instruments, TAMS320C62x/67x CPU and Instruction
set, 1999.

[9] Texas Instruments, TMS320C6x Optimizing C Compiler,
1998.

[10] Texas Instraments, TAIS320C62x/67x Peripherals, 1999.

[11]LG information & Communications 1Ltd, VIPS-HD II
manual, November, 1999.

[12] Rabiner, L.R. “A Tutorial on Hidden Markov Models and
Selected Applications in Speech Recognition,” Proc. IEEE,
Vol.77, No.2, 1989




