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X

P(0) ~ P(2)

0.0001467030

0.0006440501

0.0013872184

P(3) ~ P(5)

0.0022496168

0.0029922258

0.0032903636

P(6} ~ P(®)

00027959874

0.0012289700

-0.0015186589

P(9) ~ P(11)

—-0.0052887053

—0.0095988712

-0.0136433442

P12} ~ P(14}

~0.0163645013

-0.0165973462

-0.0132610303

P(15) ~ PQ7)

-0.0055798040

0.0067214252

0.0232805334

P(18) ™ P20}

0.0430581025

0.0644107139

0.0852768730

P(21} ~ (23)

0.1034483961

0.1168885491

0.1240323719

P(N+n) = P(

{N-1)-n }

where, N=24 ,

n= 0...N-1
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Table 2. The Ratio of maximum to minimum
eigenvalues ( A /A, )in each sub-bands.

:’L_E' Amx Amin Amax/ )'min
Colored Noise ]9.5931e+0051.1676e+003|  821.5729
I band 1.9379e+004; 614.1815 315518
2 band 1.9375e+003| 326.1362 5.9407
3 band 8.3908e+004 | 2.5550e+003 32.8408
4 band 1.7861e+005 | 1.9505e +003 91.5736
Real Data 1.1690e+012{3.9588e+010 28.5293
1 band 4.7460e+010] 2.1822e+010 2.1748
2 band 4.1602e+010{1.6019e+010| 25970
3 band 1.7972e+011 }5.2102e+010 3.4494
4 band 26141e+011 [ 4.6558e+010 56148
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