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H/W Implementation of Speech Processor for Cochlear Implant

°J1.Shin, S.H.Park
Dept. of Electrical Engineering, Yonsei Univ.,

ABSTRACT

In this paper, a speech processor which is the
most important part of the cochlear implant is
developed, to recover auditory ability for the
sensorineural disorders who have damaged for
their inner ear.
analog and digital signal processing part, of
which functions is the pre-processing and the
main  processing, respectively. The main
processing is performed in DSP processor
(TMS320C31-40) by using S/W. Because the
program is used in this system, it is possible to
cope with the individual status of the patients,
very easily.
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