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1. 8 kHz sampling, 16bit PCM input signal.
2. Frequency band: 100 - 3800 Hz
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4. Multiband mixing model:
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Mixed pulse & noise excitation:
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6. Adaptive spectral enhancemeni:
Postfiltering

. Harsh quality reduction:

Pulse dispersion filter
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1. Frame: 20 ms, 10 ms subframe(unvoiced)
2. Weighted VQ of variable dimension
spectral vector

[ov]

. Fast harmonic synthesis algorithm by FFT

4. Interpolative coder parameters for speed/
pitch control )

5. As low as 33.5 ms total algorithmic delay
is supported

6. 2~4 kbps scalable mode is supported

7. variable rate coding for less than 2 kbps is

supported
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7. High quality speech but high complexity
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