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Abstract

This paper presents a technique to enhance TDAC in
the AC-3 algorithm. To reduce block boundary noise
without decreasing the performance of transform
coding, new special window adopted. They improves
the defect of the AC-3 algarithm that couid not
properly cancel aliasing in the transient period. In
addition, a fast MDCT calculation algorithm based on
a fast Fourier Transform, is adopted.
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2.2 Modified Discrete Cosine Transform(MDCT)
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Fig 1. Sharter Block Transformation in AC-3 audio
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Fig2. Window Transitions for Input Signals
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Fig6 Comparison of eator signal betweeen fast and
direct transform case of cosine input
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